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Abstract: The multi-channel linear prediction (MCLP) is one of the most popular speech dereverberation
methods. The band-to-band spectral subtraction model has been adopted by most existing studies to obtain
the desired speech signal in each frequency band, but it neglects the interaction between different
frequencies. This paper proposes a MCLP-based speech dereverberation method using the cross-band
spectral subtraction model instead of the widely adopted band-to-band spectral subtraction model. The
proposed model employs cross-band filters to account for the interactions between different frequencies. We
model the desired signal using the complex generalized Gaussian (CGG) distribution. Compared with the

Gaussian distribution, the CGG distribution can capture the sparse nature of speech signals using a suitable
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shape parameter. Within the maximum likelihood estimation framework, the speech dereverberation
problem is formulated as an optimization problem involving the band-to-band and cross-band filters. An
optimization algorithm with guaranteed convergence is derived based on the majorization-minimization
method. A series of speech dereverberation experiments under various reverberation times, different
channel numbers and different source-to-microphone distances demonstrate that the proposed method
significantly outperforms traditional methods in terms of dereverberation performance.

Key words: speech dereverberation; multi-channel linear prediction; cross-band filter; complex generalized

Gaussian distribution; majorization minimization

i

51

755 P 25 1] v, 1 7 20 SR 4 310 0038 35 15 5 S AAL A5 B3k 7 L 3 4 455 B 300 S 7 RS TR e e
T 25 TR W B R B8 A8 G ok 25 BRI A S i TR e B 20 ok i R U BT A R R I R e i R A 4
BRET DR S R S A T e B 2 SO R T B TR AR R AWUIE S KRG

VLA, B N AN Y 28 B AT 2R i SRS T R BRI OR R T R R R 2R e 7
TS X e A A g BT T VR 2R W45 00 0 1 M IE TS S A B ik . SR TR M2
o 246 1) T 25 TR R 7 1 AR D IR0 2 A5 R A o] I ) R o A S AU B 1R S 2 IR R R M S G R LR
PR B A 50 a3 )R IR 4 TR 2 5T B (1 0 1 S PR L R0 A R A I e ) PR A
ST RV I 2 Tk R IR A T Y 2 R S R (L S I 4 S R T B A 0 Y b 2 B kA W B I
Y5, IR L0 26 A0 B I et B B O AR 2 T RIAE AR IR L ST SHE S A A 5 i T
Tt W B 2 2 B e Bk B O % AR A e R AT O I (B . X SRS R BRI Ay S S, Horh — 28
S PR 2 22 30 T A% 338 pR VB, AR S P R A BRI IR A T B TRLA 2 B R AT A A AR BT 0 R
RS R 225 3 1 3 oA RO IR AR B — AN R TR RO AT 55 X O ik R EE AR R o T
S 3 G BV ME R, 53— 28 7 1 0 X Al HEAT BRI TR BRI T IR SR Y. 2
2P 15 (Multi-channel linear prediction, MCLP)f# J& 31X 25 77 i (93 8% , Of H O & gk 9 & — FpaE
AT R IR M T T A S A L AR e, MCILP Ty 35 3 g 3 s A R K A W A S SRR
o X B AE S AT e A R SR ARG R AL R S8, TERX R E T TR A SRR S EE S
4 96 36 43 AT L 58 5 e 30 A3 A AR BE (5 S 1 I A IRk R B AE AR o AR 5% 2% (W eighted pre-
diction error, WPE )" {0 22 {5 5 g 452y Bk 25 085 300 3 A3, A1) FH 185 0 40 A 1 60 728 O 25 BB 5 15 5 10
i 78 R g . Jukeic 2570 i — A5 B 8 R 0 4 A B4 22 a0 A Al SRR R 3 A, R P AR £ B 4 e R Ok At
T 15 5 AR BB E L A ALH TF T MCLP U8 Ok % 1 25 IR ma sl 5 100 (HI | Al 60 4 W 40 Al 12 80 1) 2
B ERZ W ERA BB T RTEEF S W s A, WA ORI T SR 57 (Com-
plex generalized Gaussian, CGG )43 fii #4 MCLP il 215 5%, Hirh CGG 204 AR B 5 RE 8 I
B SR 5 o A0 I R B AR B . 3R T A BF 9 R SR T A i R AR A S [ B A ST A AR B
f55 o o I A o R T R TS ) A 2 Il o A Sy, 2 S A R e 4 A K O
JIN T 3 W B GRS R S AR K A5 301 SR A S A R B BTIR 25 . O TR X A4S [l 8, Cohen
A5 SOLYRL R T 0 D g L B Y L H |, Cohen %5 BT SR FH O T TS U8 DL AR AL R T M AR Y
PIAS -7, I A A5 30 A5 5 T SR ) I 722 8 357 23 A A R R T3 3 5 5 9 I 228 R, 3T B 2 PR A 3%
7 PERE .

ARSI T LAl S Bt — 2 R R S R AN 22 T R M TN O IR s . AR



BB FARLTFERE MG S E KT EF KRR Sk 1137

SCT7 SR HL 7 1 DR A AR IO B A5 5 SR A CGG R RS Rk st I B2 A5 5 0 0 Al o AR SO 1%
SR FH ) CEL 2 i DR A 2% P T AN () Al 22 ) AR EL S ) DR LG A R A R BN AR R 22 . 5 Co-
hen 2832 1 1975 15 A1 BE , AR 307 12 2R )™ SComs 307 0 A SR SRS 5 W0 O A i 1, AT 3145 17 S 4 ) 53R i)
PERE . TEROMUAMG T ROHESR T, 1 5 25 TR W) ) RSl A g 05 AR L 317 22 0 T e P 9000 0 e 1 £
IR 2 T AR/ IME DT 4 T T AR RS A SR A AR Tk o P R S0 S 96 LA L% A AN [+ Y W) ki) A [+
U P o B RIS () 308 R (9 P 2 3 5 R B PSSR SR 1 AR SO AP BE A DR

1 EFFHERRENZEELERN

1.1 FHigEEE
HIEAE— A D A R AL R SR BRI E BUE & E S g . 8 LIME R S I IG5 o, () FERTHI
IRV & TNy,
1 (j)=s(j)*h(j) (1)
oo ()RR AT 3" RRABTRERAE s A () 3R J (8] ok e 17 o F) FH e e B ot 46 | (1) AE A
BICE KR Ryl A B A
IL/J%PZDI RppSpi—p (2)

p=0

R A5, 9 L FE{1, 2, -, FY RRBURRT] , F &R M8, 1€{1,2, -, T }i'%mﬁ#llﬂﬁ?i%lﬂ%%
S T WORC L T A LA (2) T AT A

M L—1

Il,// d//+ z zuym/lxm// D—1 (3)

m=11[=
Ked, W EAE S s M O 880 5w, S5 E B MCLP 38 &% 5250 L Oy 3838 T 8 5 4% 14 B
B D Ay I T HE R o i) S 3 A P AT 0I5 5 0 A 15 5 2 T M S 3R(3) Ay 4 1wty e

fF o d,, = Eh/p‘// PO eI ekt U PR (B B D a7 S S Y <6

ﬁ%ﬁ%mﬁ%?ﬁﬁmE o 3C3) A 2 TG0 1 D 5 TN ) 5 TR w5 5 O AT
AR (3) B AE S 0] IR IR N

. H =
dp /=5, — W Ty—p (4)
H
:—tt: rl_l : w‘/:[wlll.,/’ ZUIZIY;/"”"w;[‘/II.]} eCMLX1 j‘j % % MCLP Yig Yﬁ zg' s Wiy — [wm./,()’ Won, 15

vl JTECT B H R LB 2, p=[ 2, 5 & o E, ] €CT
Tt 0= T 02T D10 Ty 11 ) ECH U m AR AE IR A WIAE S, AR T FoR 4
o PRI RUEE SR A T MCLP 8 A% 240, (8 AT DU o 77 3% e 28 (4) 15 B 245
1.2 FRER KHMEBEREFE
T A X T ER AT 5 9 S 50 A AR R AT AT, SRS S R A T ER A (LSRR BB 6% SR AR RS AR v i
WS SH AN 3R 25 7 AR ERAE 5 o, IR II(E R 005 228 A, W B A8 w8 B 40 A,
p(d,;,)ﬁexp(éi’j) (5)

W3 (DRAR(E) , WPE £ 5 — A Fild /MU A5 5 1 S UK el 40 A




1138 R E B L Journal of Data Acquisition and Processing Vol. 39, No. 5, 2024

T Xy, w . T
E(wf):z b p Lo +210g/1f;, (6)
=1 St t=1
F MCLP U8 i a5 1 P Ui hy
w,=R,'p, (7)
K
T ‘f‘zi‘ﬁz
R=">" f‘A‘f' (8)
t=1 /it
. jﬂxﬁn
e ©
o .
fot
2
A//*‘d/;/ (10)

— X Ry 2 AT AL B A, = max { Ay e |+ ABE SRR (8) RS (O) 7 A B 75 5
JE & R— /IO IE R, SRR T D B o, 2 IS 15 22 7 9 3 ik TV A 8 (4) 75 1)
WERES Wt e KR m{ES .

2 EFEFHERRENET UEHomNSEELEHRNIESEER

SR 4 L 0 ) B 3 T R AR ) 22 T 9 475 Al 8 A ST 3 R W 3 R A G i A
(4) A3 0 W BA5 SAFAE AT B 22 o A 1 fifk DRI A TR) R, AR SOOI L 5 i i A 28 R A A 0 B A 5
PFHLH‘ifﬁﬁ[SO]EPfX%ﬁ*ﬁ@Bﬂﬁ/\¥%E’JE?%iﬂ§vﬂﬁﬂ AR SCHIT SR A B 3 R T e e A T
WRR SR B B 2 7 Z W A R0 . gE— P H R )T S o0 A T AN & WPE BTk H
f19 1o 397 0 A R IR ALY R AR S i G TR E%ﬁxﬁlﬂﬂﬂﬁﬁmEIE%EI’\J%BHH o
2.1 BEFHIBEEER

B A ASE AR (1) 26 A 35 T AR 6 7%y — 2R 90 L -5 B D 7 1 A, B

P—1F—

Lrpe = Ezhrfp/rp (11)

p=0/=0

Kby, Fon B g AR o AT 230D ARG 8 2 k|, FUZ (1) 515 38 I A 1147 8 0 A
MSH R F X F X P,i@k?ﬁ(Z)qu@?%ﬂﬁﬂi%%ﬁ%FX P ARSCR 0 U8 B A 2Q A
7 Z ] B Al PR AR R Rl (1),

P—1 —1 /tQ

Il/,wzh//ps/, ﬁz > hyse, (12)

9=0 f=/=QSFS
HIHE T 38(2) 0 74 8 BLBE 5K (12) ot TR JH T P, 20 0 2Q 174 2 I 6 12 45 W 75
T A I A0 M DL 70 (1) o 5 S 7 1 9 12 4525 BBOR (12) T 2Q /4 12 748 0 0 2
T B R

M L—1 M L, 1 /T
T =dp D) D Wi Twpn—1, T D0 D0 D0 Emps s, (13)
m=11[,=0 m=110,=0f=r—Q,f#f

St L, 5 B A T4 2 0 BT MCLP W B8 19 W85 g, 3R T PRV T4 £ 2 WG 1 T4 %
S T 0 5 . X (13) T Ll % 17T A 5 0 i o



B B OFAR LT R R R B A A e a8 X BTN E ke K 1139
diy=x1,,— W' T8 &rip (14)
R w=[wl,wh e wh ] €CY T MCLP g W8 5 w,, = Lw) 0, w0
w;v/;l,,,—l]necl'xl;f/;z—nz[if// D> IvT/z D> iAT/I,j;hD} GCMIM 3T g D— [1 nfit— Do L fit—D—15""" >
T pi—por1,+1 €CH NN HT m A8 I LR WIS 5 g, [gﬁ,,gz‘f,,---,g&,,] € CPMbe L T
MCLP & ¥ 4 5 8.~ [gr:[,f;ffcz’ g,i['/v/-,Q,l, ""gzl,/;/+cz}H€C2QL”’X1’ I [g,;,// 0s gm// IR

T
* H LyX1, =~ _ [ =T ~T AT 2QML, <1, =~ _ =T
g,,,,fval,(,,fﬂ cC -T/zfn*[l"l fit—Ds L2, 51— D> ’1M/'/7D} eC S T p— [‘lm\/*Q,Z*D’

xm.f—QH.z—Dv"'v m// 1)} GCZQI Xl’im// DT [lm// D— 11/11/1 D—25""" i'm,f;r—r)flﬂ,,\JTGCL‘"XIO AH
EE 30k [ 30 11 SR FH 09 A 5 R AR 418 1 > 77 22 1] B2 19 i ol 458 780 S ], A 3B 7 i ek A 780 (14)
FRHA T 2QAFF Z 8] 9 B U8 Ik 45 e 5 47 M g B BB 5 5

2.2 HIEEBINKMNEE
ST IR AL T AN A MCLP 38 0% 2%, AR SCOT B R B ) S 40 A ok A ) 2R (5 5

¥
’ df, t
A

B
2ny2r(2Ag)eXp
Py >0WRESEGL WIERSEGT( ) K gamma B, 24 8= 2, CGG 20 A B 1k Jy 5 87 43 i .
MRS H L = 10, CGG 43 A iR Ak b - Fr i o0 A o TR AR S EOR B T B A5 5 0 A (0 AR B A, T/
RSB B G T o, = 040 HBUHE w1 i AR 05 | SCHF R T SRS B A0 SR 00 A0 A 2 1 S 0T 40 A AR T
FSVR M T AOY B0 T8 G 5 DA R R TR A B AT 55 TP B E I R 6% A Ak A R 4 A e 4y
W, I BLIUS T 00 F e o0 A i 25 .
IO A (LE) AR S5 ALK o 0 45 20 0 245 5 A A — A 7 19 ST BRI 8k R 80k
) 8
E(wf,gf):Zl » ‘
3 (15) F1 WPE B A o B0 B A AL T 2, O Ak 20 (15) 45 M T d5 /N Ak 9 7 8 249 S A i) 15000 3¢
#. M T WPE B RUR R E0(6) & 6 TG S 0 o AR s (16) R FIIEES gk, 4
0<<p << 21}, BRAE A R A FH 1B 55 10 3% i A Mok 24 O R 5 5
2.3 fitkA*E
AN SR EL(16) 51 A T i B 250, It LAAS g 15822k F MCLP 38 1k #4519 5K i 7 U A9 R A S8, AR
F 0 MM 825U BB (16) BEAT 04 . 75 MM B vE A HE 28 b, 3 JE 48 B A B B0 T — A B 1A
A A () majorization PR EL (B R %) , 28 )5 1L 1K majorization B AL HE B ¥R B %L 1 T majorization iR
Bl AR IE AN 7E H b5 R 508 T 321, 57 L MM 45k B850 J2 Bl f i iy
B A MM BEAER (16) . & RE(0, 2) BB AR IS AT R LT P2 A% 15 5]

%{1—?)@, (17)

i, A7) RS L . A7) AR SO 3 — 450

P(dj.r): (15)

4

H H ~
’Iym T Wy Lp-p T 8 Lri-
s

+ 2logy (16)

d, k%\dﬁ,

st g, > 0 iR, AN, =|d,,
(16) B BY AL £ (w,. g, ). I L% 06 4 J2




1140 R E B L Journal of Data Acquisition and Processing Vol. 39, No. 5, 2024

F T 1
L(wg,g )<L (wg) 227

f=1t=1Y

ﬁ H = H ~ 2 B g
F i Wy Xp—p— 8 Ly 1‘ - 1*5 & (18)

ﬁ%aa%gﬁ,ﬁxlw— Wy, gl E, o A MR L (w,, g ) T [w), gl ]

H
U bR DT ol gt | B P S 06 4R A T4 MCLP U8 38 98 w, F1 L T4 MCLP UE I 2% g,
L (w,g)
é—ﬁf%:m%
a[wf,gf ]
H
[wi'.g/'] =R ", (19)
=
H
R/:i[xH/'[iu’xH/'[il} [1/,/71%1/,/71} (20)
=1 q/;z
H
L ‘in [ "in t— I;z L
P/ZE[ ftoD S 1j| S (21)
=2 .
aj;,:max{c{,z;f/?, emm} (22)

1T WPE FI CB-WPE(Cross-band WPE) J5 i th i 5 — b K d 7, Bt 82 05 1 R F I 03— AR A 7
d;,; P IR SRR A IS S S AR B
A R B A Sy R A — AR R T df, 7 WEP ik I3 — 4k R 7 & 1) B, 2 8=
0,9 H Q=00 , ARSI kiR M G 1) WPE Jr i, it LIAL G2 ) WPE J5 ik A R IE & 15 5 10 5 hF
P =0, H Q= 10, A BBk CB-WEP J7 ¥, T4 SC 5 B4 I T CB-WPE )7 ¥ g6 %
JEE L2 FF 2 8] 0 B A DR A o B AR, A SO kil ek 2 AR LA T A A MCLP 8 28
il % i 2430 30 B S s T (14) 45 BB (5 55 AR SO ik PO CB-CGG-WPE B3 Bk 1A T
FE 4R 5 1 1 P AR
#i#%1 CBCGG-WPEHE
ZHREE L, D, B3, K,Q, Ly, I,J, e
1—?@}/\: Lo fit
WIHRAL s w <= Oy 1y < 05015 1< 1
M <T A7
Xif A — AN AT A — A D, F BB (14) TR ),
Xof A — AN A A — A RN, $i IR (22) 1T o,
XF T A H B (20) 115 R,
XF T A A AT FE IR (21) 115 p,
XF A — A IR (19) 115w, g,
i—i+1
4k
LIEE dp.,
3 IGAERITMH

A i — %ﬁﬂ;&?ﬂé?ﬁ%}mﬁ&%@%o SEHG N TIMIT %dls £ b BEALEE I T 30 Be 12 s K
VEAR 5 LN AR o LI A5 5 e e K 00 3 4 v B8 RS 0 1 ) o o ) 7 A8 ARG A 31 0 A SO B



B 2 F . AALTFRIERBRERHFSREN ZEEEETANEST X RRT & 1141

A3 A 8 TR ok s e R, e A P R E 4 A 28 ARG TR BE R 8 om bR ol R P A AE 7 m X<
om ¢ 25 mUR TR RAEIAT o s e memsumnsn-asnme
AR 0.5 m Fl 2 m, 533 o g AL s 5. .

- able 1 Microphone numbers and source-to-
— A AT R SR LR, 3 S 1T 7 BUE E
VU 3 G L 7 AU 1E AL P IE o FE R,

microphone distances in different sce-

narios
WEIRWREMN0.5sL0.1 s KA 1 s, =) FEESHCE AL R
A PR T 5 WPE Y CB-WPE ™ 3k 47 1t ;gl %F'%j’ﬁ(m 7R %F;'i%@f'tﬁ/m
B TEPA B SEE H SRAE AR 16 kHz, A I FEL iR o 4 0.5
e 149 43 7 8 2 32 ms (1 Hamming % , WS o 4 19 — 1 3 2 2.0
S B AIEE D = 1, 3 Uk B A0 K i 5 T o i i) % 5 i 15 4 1 2.0

BOf 6 BRI A )L 0.5 s BN 1 s, PUSE i
BT IR A KB L e 15, 17, 19, 21, 23, 25},
AR LE T U 3 5, S0 IE 5 5 T B MCLP 38 35 a1 B3 i — A% . MCLP 38 3458 #5000 46 6 % 1) &
MR SCHk [22] A ST B A 5518 10 AR R BCH 6, e /MME €, =10 °0 A SR PESQ(Perceptual
evaluation of speech quality) , JH—4k SRMR(Speech-to-reverberation modulation energy ratio) ,CD(Ceps-
tral distance) , FWSNR (Frequency-weighted segmental signal-to-noise ratio) fil ESTOT (Extended
Short-time objective intelligibility ) A ¥ 84 (9 PE g, i R 9 PESQ .SRMR . FWSNR il ESTOI{f A
L MR B CD i 32 1B (9 25 1R R P RE
3.1 MREIESLI

R T UE WA SCO7 I WA M ST T B SR ) Bl O A R A S v S A A A . A
LJ7s 1 T4 05 2 b P37 5 4 R W IR 8] 2 0.5 s Y B8 I IR0 Y F 25 PESQ RS B 14 B0 (2Q) Al
Tl MCLP JE % #8 1 8 (L ) AR A5 ol , o gk 2480 = 0.5, FWSNR.SRMR .ESTOIF1CD fH 1
ARG G5 PESQARAL, AT 25 18 21 2 6] BR ) - R A SCh s o NI 1 R] LA Y, B o S g — 1
B IR AR B A BE X TR 4R 7 2 S ROCR AT B B o B L BORE RS L R e — A
A 08 e B B S, AR SO 1 RS A R AR SR S AR A R IR IR Q = 2 R L, = 3 B AT U R 4 Y
RO IXUEW] T BT 48 B 15 R T DL K 5 AR 22 Al A S

DRUN-0 500 Zhsel 288 258 258 Zed A5 258 255 255 2SS AsE st Z5E Zsy 25 RS

1.00F2.53 2.60 2.65 2.65 266 2.66 2.66 2.67 267 2.66 2.66 2.65 2.64 2.64 2.63 2.62
Q
2.00F2.53 2.63 2.69 269 269 268 267 265 264 2.6l

2.59 R256NE2ssd

3.00F2.53 2.65 268 268 266 2.64 261 257 253

0.00 1.00 2.00 3.00 4.00 500 6.00 7.00 8.00 9.00 10.00 11.00 12.00 13.00 14.00 15.00
L,

1 AR SCO7 IR T T4 MCLP U 2% 280 Q FI L, 8 AL U7 197 39 PESQ 754
Fig.1 Average PESQ scores obtained by the proposed method as a function of Q and L.,

B2 JE R T B4R 5 36 A B 5 4 v IR R EEEL R 0.5 s B 508 B B0 19 F 35 PESQ Fili %5 8 0k 2 54 g 28
TN, i Q=2ML,=3. FWSNR.SRMR .ESTOI 1 CD & A9 45 1% % F1 PESQ AH L, K 1M A&
BEIR o AT LUE I, SIB AR S EON 2 825 080/ O B A SC5 1 B (9 54~ 48 45 1) - 284 14 02 Se 48 I 75
IR AE B = 0.5 81 0.6 Bt 3 B e A AE o 302 PR 38 Y 1 R IR S 50 B8 % B 4 4 3 T il o 05 5 19 40
A, PR R A RIR M ROR . 4 = 0, AR SO R IR AL 5 1) CB-WPE ik, PR Bt B 3 T R% .
DOUE B T A SO B NG S 2 A0 1A i .




1142 R E B L Journal of Data Acquisition and Processing Vol. 39, No. 5, 2024

3.0

0,2.5'

wn

&
201
1:5T

00 01 02 03 04 05 06 07 08 09 10 1.1 12 13 14 15 16 17 18 19

B
B2 Ak TR S 5 5 72 AL U 197 2 PESQ 1347
Fig.2 Average PESQ scores obtained by the proposed method as a function of 2
3.2 MHEEEXTLLSLIE
(& 3~5 43 il s 1 3Fh 7 L AE 4 #7550 F BUIH 19 PESQ .F WSNR FI CD £ F+ 19 ~F $4 , H b i il

TR MR R] 15 25 4R R bR i 25 . 3Fh 7 ¥k SRMR \ESTOTE bk I B % e 45 5 5 76 PESQ .FWSNR Al
CDF8 bR L xF b &5 S 3L, PR PR s o 388 T 28 7 it (RN (B 22 180 1) 25, 3L Py A(EL R
55138 WD AE S AT IR R P T R E ) BEEA . T AE R ERE SN R T
CB-WPE J5i& RRHUS A T WPE J7 2 A &R, 33 2 B 1) B 77 108 D52 45 19 B 5 35 s A 780 L S0
AT U8 U A I AT A A T IR . 7E 43R R X H SEES AR S0 CB-CGG-WPE 4 A
T PESQ . FWSNR A CD FFEE o 3% /2 R R AR 3CH 16 AN RE 08 A B 1 Dol 155 76 4R A5 1R 22 o
NI EEAE S IR 0t R A5 S A R R 4 T B 0% S o B b R AR R A S A0 A A R AN . A BT ORLE
T B35 VRS 3, AT 7 e DUGE T8 9 3 5 2 Ao 4 T U TS B g g v R AR T X e B r 4

181258 237 222 2.09 1.96 1.86

1.8[2.58 237 222 2.09 1.9 1.86

1.61 1.51 1.43 136 1.28 1.22
as s SR Tee o SRR e

1.61 1.51 1.43 136 1.28 122
et i A s =

Lér A Ler HAME A
o 14 ol4
B2 B12
=% =%
<1.0 <1.0

0.8
0.6

0.8
0.6

0.5 0.6 0.7 0.8 0.9 1.0
t/s

(a) Case 1

0.5 0.6 0.7 0.8 0.9 1.0
t/s t/s
(b) Case 2 (c) Case 3

mm Wpg == CB-WPE (Q=1,L,=3) == CB-CGG-WPE (0=2, L,=3, $=0.5)
3 3FR IR 4 Bl 5 T b BEAS [G] 10 Wi IR i) (9 385 55 {5 5 I JUAS 19 2 PESQ 42 7HE
Fig.3 Average PESQ score improvements obtained by three algorithms for different reverberation time in four cases

6.5
6.0

0.5 0.6 0.7 0.8 0.9 1.0 0.5 0.6 0.7 0.8 0.9 1.0
t/s

(d) Case 4

(12,6 11.45 1054 9.82 9.22 8.72 6.5 12,6 11.45 10.54 9.82 9.22 8.72 6.58 6.06 5.66 5.34 5.08 4.87 6.58 6.06 5.66 5.34 5.08 4.87
i i ey DD DD Y D2 D70 O 2490 VD PN Re 0 el

ool WA I @A 300 A
Esof 5ol I
£ a5t Z45f
G40t G40t

3.5
3.0

: - : J 1.0 0
2 0.5 0.6 0.7 0.8 0.9 1.0 23 0.5 0.6 0.7 0.8 09 1.0 0.5 0.6 0.7 0.8 0.9 1.0 0.5 0.6 0.7 0.8 0.9 1.0
t/s t/s t/s t/s
(a) Case 1 (b) Case 2 (c) Case 3 (d) Case 4

== WpE == CB-WPE (0=1,L,=3) == CB-CGG-WPE (0=2, L =3, f=0.5)
B4 3Fh A ARz T AL BROR W) IR R A TR) 4 3 05 S B EOE 19 - 2 FWSNR #2715

Fig.4 Average FWSNR improvements obtained by three algorithms for different reverberation time in four cases



B % FAALTWIERB AR R S8 E RN ES X Ra sk 1143

-0.5
-1.0
A ls
Q
<-2.0
25 ' 4
HAE BAME WA
—3.0 [3.27 3.76 4.17 4.50 478 5.01| —3.01-3.27 3.76 4.17 450 4.78 5.01| ~2.51547 583 6.11 632 649 6.63] ~2-5[5.47 5.83 6.11 632 6.49 6.63
0.5 0.6 0.7 0.8 0.9 1.0 0.5 0.6 0.7 0.8 0.9 1.0 0.5 0.6 0.7 0.8 0.9 1.0 0.5 0.6 0.7 0.8 09 1.0
t/s t/'s t/s t/s
(a) Case 1 (b) Case 2 (c) Case 3 (d) Case 4

mm WpE == CB-WPE (0=1,L,=3) == CB-CGG-WPE (0=2, L,=3, =0.5)
5 3R0 7 ke 4 Fp g 5e T A BHAS )R e BF 8] (9 15 55 15 5 e BBUAE A9 S 2448 CD 42 T

Fig.5 Average CD improvements obtained by three algorithms for different reverberation time in four cases
75 1 RE N T 2200 T8 i I A S rh 2 4 o X R IR AR SCHER [ 22-23 [ rh i g B . AR TR a7 5 1
3G 5 2, AR SCOMEAEIE S W3 5 3 M 5 4 F HURS AVERE S T U 254 B B 3 15 WY Bl P 101 7 4%
[ B A, 25 9 e A 55 B o IR

6 s 1 — A>T RE IS 5 IR i 1 )5 B9 AR, DL R R T 3 Bl 07 2 X% A5 5 R IR e 2 )5 14 3
4 B AR o 32 461 £ T 1 £ 538 3k 3 ¢ 4 v 500 s Th M B[R] 1) G ] J5k b 17 A= 8o DAL 6 rpobs EU Y O
HE DI AT DLt A LG T T 8 & 05 5 00 A WL A5 5 v el T A TR TR I )80, BT A I 3335 7 15 1]

8 Power / dB
% 6 40
< 20
2
24 0
g 20
=2 =
o2
) -40
0 = — -60
0.0 0.5 1.0 1.5 2.0
t/s
g (a) Speech spectrogram of cleaén speech signal
N PO:lvlgr/ Power / dB
T 6 B6
54 &4
g8 205 -20
& g
Q2 — 2 =
= : = , 0% 40
— = 0 e — . i I -
%0 o5 1.0 L5 2.0 %00 . 1.0 ‘ 20 0
t/s t/'s
(b) Speech spectrogram of observed speech signal (c) Speech spectrogram of dereverberated speech
3 signal using the WPE method
Power / dB
2o
> 0
%; & 20
g2 : -40
FL‘ E T —
N _ - = = -60
0.0 0.5 1.0 : . ! ;5 1.0 1:5 2.0
t/'s t/s
(d) Speech spectrogram of dereverberated speech (e) Speech spectrogram of dereverberated speech signal
signal using the CB-WPE method using the CB-CGG-WPE method

Bl6 T efE S I TR M A5 5 3 5 i 2R w45 235 0 I A

Fig.6  Speech spectrograms of clean, observed, and dereverberated speech signals using three different methods



1144 R E B L Journal of Data Acquisition and Processing Vol. 39, No. 5, 2024

Y E A E RIS . 30 R TR ik YRR AT RO A B — SR e B4y o AH L T A R v
IR AR SCO7 45 B 0 23 1R W 5 05 55 04 B 0T 53 A o Y5 BT, A B TR 2 B b R I A B S L X UE R T
AR SCTT TR A R

AR SCAE S 4 BT E T LA R IR A R RE . S BUIE RS T 30 4% 12 s KT TR 4L
5, 30 S F A 2 A A T T B S A 0 25 B TR R 8 em 11 4 TG Sk B S A L I L 7R IR RINER [ b 1 R
BoA2m, BRT LOCIRBIA WA TS5 S A B ik AR LR IR N T — Rl I T IR AL W A
SGMSE+ 773 1% 05 i R T 6.5X 107 2 H 4 19 14 8 M 28 90 4 Rty o AR SC BT 4 5% FH STk [ 34 )T I8
BTN SR B AL AT HE R . % I8 3] SGMSE -+ J& — R i JH 15 RIR M Bk, R 2 RN R T 3R L T4
THE S AR 7 iE e Ll E 5 T RO RE . R 20T LLE I, 7 Ll i 3 5 , SGMSE -+ J5 i U 11 35
b8 A0 T 3 T4 5 5 A B T vk o B A% 40 7 3l ok R 22 38 38 A 0000 15 5 0T DL SRAS 48 B5 1
BT, AR S0 Ty B AE MU 3E i 3 5 R U A FWSRN . SRMR .CD #I ESTOTE ¥ % #L T SGMSE+ 78
PR T U D AH AR BR o AT 08 R A FH 2 TR i ) R A 2 IR 2 SR A B Ok PR B 3 s e AT IO,
JIT LA R 4] K R FH 22 30 38 {5 8 0 e T 5 b B 5 vk 55 TR R 28 I 2% 7 TR AR 4 A R AR S R O 1

K2 ARAEEIREBELNER(BELHREE)

Table 2 Performance of different methods on the real-world dataset (mean * standard deviation)
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