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Abstract: Over the past few decades of development, microphone array technology is becoming more
mature, which has been applied to various human-machine interaction systems, e.g., video-—conferencing,
intelligent television, mobile telephony, hearing aids. However, in realistic noisy or distant interaction
scenarios, the sound acquisition quality (SAQ) of conventional topology-constrained microphone arrays
cannot be guaranteed. With the wide range of using wireless intelligent terminal devices, distributed
microphone array (DMA) or so-called wireless acoustic sensor network (WASN) provides more
possibilities of improving the SAQ for speech interaction systems in complex and open domains, and shows
a superiority in array organization, application experience and scene coverage. Recently, DMA exhibits a
good applicable potential in many speech interaction tasks, which almost cover the tasks that conventional
microphone array can handle. This survey will mainly summarize some existing important sound acquisition

theories and application methods of DMA, including principles of array organization, utility evaluation of
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microphone nodes and the application methods in combination of downstream speech tasks. Finally, we
will briefly discuss some key challenges and developing trends of the road of DMA to practical usages.
Key words: distributed microphone array; wireless acoustic sensor network; microphone utility; speech

interaction; sound acquisition quality
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K TC 1) 18] GV, € )R A2 5 XU 2% HEAT R A58, T i 4 VAL & BT AT A2 JE XY A5 B SR T AT
S XUOE 22 ] A AR AR o & 42 I i i By N R
W(£)=0.5x(R[k]+R"[#£]) (6)
A T 05755 A 408 T0T 8 %) 342 42 AR 1A R R AT DAAS B T 6 19 B (Degree) , BT A T00 A5 (14 J32 440 g 1) XoF
SRR D [ £ ], 2 THEEBUR & w [ £ 13875 22 50 AR 235 4, JC ) 18] G R0 T S8 35 1k 0 BT 55
i A i 1] 73 )R] R

s 51wy CTANDLE - WLl 4]
8 W'[R]D[kulk]

AT UE w [k VRS R AR L[ R]=1,— D "Lk IW [ & JE9FFAE 0] 5, RE B L[ 4]0 0K e /NREAE
LT XoF 17 F) AR 1] i (FE A % o ) B A 22 s WO Rt w [ ke Jo 7B 45 28 B KAV 22 d B S5 4 L 7T
DL AP w [ VR IT XS I 14 22 5 KUK 8 B A 05 A0 & RUOM 09 93 A X 22 5 XU B 91, At 7 a1k
A R LA A g
2.2 EFFAEMMEZERXEAMGIT

Gt b 1 5 1 9 AT 45, Naraganan 2570 41 T 38 A 50008 10 22 5w KUK A 3O o L R 2k — ek L
WAk E N £ 8 GE Y9 E D 2% (Speech distortion weighted multichannel Wiener filter,
SDW-MWF )33t i, 1 H A sk

](w):E{|x1—w”x|2}+,uE{|w”v‘2} (8)

AP R LA E T RCRE W T35 5 0, o MRS F A T35 5 8 /e iy 4 1) 0 ok
A7 22 Z0 RCR AR I M 75 A B i 9 ) i L H R s LB B s FHPIAR B H Tk B A
R,)R, e
W= (9)
p+ (R R,,)
AP R, R, 53 B R T 155 5 AR R 43 2 () A S e MPRIR M B (CE 1IN RN 1, RN
0)o AT LLUER] , SDW-MWF UE I % B 4 H A5 e b B 25 e 398 DKM 38 K, Bl 36 00 95 R, 1) B 388 R o/ , {1
B VR T BRSSP o AR T T ke 8 R 5 A R R A )Y
TR 2% 5 M B 43 A 222 78 KU B A 8 m A1 8 3 BB T 4 S O S B U A w ,, HR
W R 2 (8) Y 22 (A8 ST S5 m 1Y L B
U,=J (w_,)—J(w) (10)
AR OH S, AE R1 A m 5RE (R AR A pR RPN R 5 LA /0N DR A 21 X A e 11 BT ik /s
B T 25 A0 eR B, o mT DUTT B30 308 8 2 0 00 1 e Ll AR Ak, A8 B R 1 5 5 A B A M bE T R /DN IR
REDERUE O3 RN S PN
FE 557 5000 DA O 320 T 40 /0N W 20 1) 2 53 L, 7 3 K40 A o 22 T NI 1) AR s i) A O 1)
s s s O RO AR SO E L

st u'[£]D[£]1,=0 (7)
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U,=J(w)—Jlw,,) (11)

FE T A B AR AR AT 04 22 v KOOI A T3 T 3 B SR AT 55, ) AR 55 i AT S0 A R R E
I 22 5 RO AT DA KBRS 43 A 230 o rb e $E R0 i 19 22 5 XU 4R T8 & 3 i (I 1 9 It 1)
SR FEAR i /5 S A BT IR AR AT SR RO B R R T R RO Y 2 e KU T
TSR P RE
2.3 ETHIgEEALNERXAMLIT

YT oy A A2 T XU 5 BEFE 5 A2 T XU I A% i 58 28 U0 A DG 3 AR ke T B AN 2D T e R LA TE
S A TR IO 245 1) 22 e I B R R A B R R R A T vk o 2 Oy ik b b O Ak 40 A X 22 v XU R B A
Jai, B b PP Ak 22 w0 XU SO -

(DZEZ X F RS B XF B — H bR & 1G5 (0] 8, SCHR [ 65 148 th 1 3 T 22 v XU 8 8 45 19 e /)
7 22 Jo 4k B B (Minimum variance distortionless response, MVDR) Jl7 s il 2, Ho 0 BAR S e/
AR B A B R BEFE L 29 SR L MRS TR Ak IR R AR R

Pl

min H diag( p)c H s.t. 'wI},IRW,,,wI,<£, w,'a,= 1 (12)
w,. pef0,1}" 1 a

b p AT AR 5E KUTT R A L 1 A R O A, a 75 R B 22 5 XU 97 11 75 2 4% 328 BRI ( Acoustic
transfer function, ATF), c Q3R Z2 i KB o0 7 g A% i REFE o< i, pARSR M T T A 22 v XUIE 2 15 2]
1 e /)N R PR IR0 <Z o << 1T AR T SR i o e R TR R AR S M wy) a, = 1T R D AR
TE H bR 55 [ e e R B, 2 s KRR R AU (12) 8 T4 A A 1), i ok o3 A A% B H e
O HME e B 28 L MV DR 3% dOE B a2 Ham e g a8 22 (12) AT L] Al by 4l 22 5 I 50 8, R
™ A4 5th (Convex relaxation) £ AR p WA 2 0~1 X [0] 3% £ A5 &, 1% In) 80 0] DL 4k R 2 1F %2 #L %1
(Semi-definite programming, SDP) 5] & , 8K J& {5 FH 524 0™ O Ak T 2SR A (i SeDuMi . CVX) .
7 X SRS R p FEAT LR TS 2 A8 40 A 10 22 S MR FORAS o SEIR 25 R R BT %07 B 7E IR ) 55
B G SRE RE B AT R T A I 5 i Y A S RERE TR AR, S A, i AR i p T DU O 2 v
IR i Xk R WA 55 1 Tk, BRSO o T — 25, SCHRL 66 I BRS04 1 ATF S 800 115 22 X 22 50 X
TR FZ IR 5 i1 T2 (12) AR T 5 0R R A5 8, O 45 2R 5 S AE 00 3 6] 3 B U0 45, SR 67 15@
ok 20V T A MR LS T TR RN AR W & S T R DT v . X TR T & e KT AR E R MVDR
BRI W B IH — 1k ATF 2 50(RIA % ATF) AT LLSR FH P )5 22 22 43 5% 111 4k ( Covariance subtrac-
tion/whitening) 75 ¥ Ak %7, B % 22 55 KAl i SCk[ 719 7 A4k <

(2) 15 I T AR A AL o 22 v XUT- 4R 1 45 07 125 R AR RE 8% DR R e I A% SR I i, (H 51 T8 v A9 A% SR
23 M BRI E (0 3R A AT B B A g B AL . (D) R T AL BB AR S MR R AR HOC R
AL s AR 3 B TT AT 29 U ER BEAE . SCHR [ 72 13 3 de /NP B 1A 9 26 BE G . 24 R A 1 e 75 ) 32 1)
2, TR RS HOR AL T R R

nm],i/? 25{]2]\/]-( 2% — 1)
=

s.t. w“Rv+qw<§, AMw=f
b €Ly, b;<by Yj (13)
e, d, N, A3 AR R TS A 53 TC B0 A% i 3 5 e 380 v 3 S AL 1) £ i B 2 R A 5 MR 7 0y
R, ., 2k 22 va AR 51 L0 W 75 5 o g ) ek A MR P A R P B AR TR R | 0 A i R PRV T AR 3R (B T



K% FooRmXELREIBFEES B F RER 1095

FE/REAS) 2t 24 o 2% LA B i 08 30 #8% w 7E B AR T 18] B A9 R o A3 AT RS B H e EORT DL R B2
2 M 29 o B2 /N )7 2% (Linearly-constrained minimum variance, LCMV ) i 86 i 2% 12 20 (13) 19 % 4 g
W (B —ZR LY R 25 N MVDR BB U #8 2 H e AR Uk 28 ) o AR LCMV 38 U 5 2= 38 20T DR 4
AR H L AHZ AR SRR B FCE N PR R . 2 A A S R RN ok st ol iE s AR 1, S (13) T
VLG AL Ry MU A (Y SDP [R] 8, 55 J 8 50 % 55 2R T R R R AR AR . AT [, 3l 8o mT DU BR A R 22 5 XL
R BR80T e T A% R 43 T Y T 3R 0 R, R 0 T () R 2 v XL A R R ) A Y T — RO
0 RAL AR B R B P 53 Ah, SCHR[ 75 ] AT 0 A X LCMV B FOE AT 55,38 H E 0l e 7
¥ (Primal-dual method of multipliers, PDMM) "7 fi# ke T 43 4 2 4% i 80 <48 1k i) 55

EAFE B2, 2 (13) 1Y B bR R & 42 5 Wik
P B A (13) S TR A 22 vo K R 3 4 F
R g T 8 RS 2 v KT SR
AR A SR I B 0 22 T RO PPAG T g, ik L ik
BH8mX6mX3mMP=4Ep 0, 8% 14 Bindis
NAR 2T I TR 0w 5 [\ T, = 200 ms, B HLAL E
J=100 4~ 22 5 KUY 81, 22 v KU 4 3 8 R R AL 3R
e B R E 7 R Horh i SRRk T iy F e @(1)2(5) A
Ko A LAAR B A S 7S R AR A S TR 2050 W MH'HHWMW

Wk B s otk <0 ] W WH
0 10 20 30 40 50 60 70 80 90 100

(a) Microphone subset selection

i

‘ﬁﬂm H

i

NSO B 85 . T A i A I 19 2 5 KU 3 £ e

W LU R, X O B AT A 5 B T MR A R A 22 T XU (b) Rate distribution

PR AW HL RIS (AR A T W (8 ey T SRR AU S M R A R 2 T S 4

e 4 5 o 5 00 FBL0)242  IXL1  7 1 Ak Ly A5

5 B RE 7 T O A A Fig.7  Simulation results of microphone subset
selection and rate optimization for distributed

3 AHREEREIIEAAE microphone arrays in a 3D room

A GG R R IRE AL BT TR B TR
BN U N H A R A S A A AR AT 55 B AR A A1 2 EE v U A T LS A v i g O ik
3.1 EFomnXErXEIRIEFIEE

T O S A I R S A R B B AR IR S S, R T B TS BT O IR L U R R
PR E R ERGEA T BB — o T A2 v KR 51 I PROE R Y T 1 5 R R R B TR
7% v K7 B, MK #8 T 1% 3k J7 18] ( Direction of arrival, DOA) [th T 25 . S F w N ATFES% . H
T4 A 22 v AR 51 1 A1 e R 5 A AR ALV | 20 25 Bl AL 0% 0 I 25 1 o 0 75 43 A =X 22 5 XU 471 7
IR S rp AR ME AR A N 0 ) 2 E] 4 S, 1 A A e 2 e KU B e RO R I AN BB L3 I T A S o 1
SRAT S5 o DRI, O AR R B 1 22 B T A A S 3 e KU B 1 R O B8 R RT 4 S B T R B
PRI A0 2k GBS T I ROR B 43 A0 S B O TR 2 T 00 43 A S Y SR R T ARRAE
B3 A 1 o0 A 20 B ik 4 28 DK LR BB .

(D) BT FREF LA 038 5 1 o . 78 KB 43 A U2 v MU 51 22 46 vh ot A 4% 8 2 1) BE AR AR AN IR
BB BT Y TR 1 B R AT 55 DU R 0 A s KR CHERR AR AR 2 v XU 8 R R Y 2 B A%
W REAE AT S A B . PRI, 7E B 22 o XURICHE 504 & 15 45 00 i 19 25 00 T DAL 7B 9 B B 28 9 Bl
BCAZ B R, 2 ) RS 35 Ry T 04 20 A A R

=
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min f(w, $) st glw, S)<a, |S|<K (14)
s

AP w RORTE TR RSP AT, SHIEPE ENES . f (w, S) Al g (w, &) 53 IR BEFEFIHE 55 14 58
R, o NPERE B K N i 2 RV 0 22 ve R . mT RARER, 20 (12) A (13) 3 2 =0 (14) i e 3], 1
Az EA R FE TR A A A,

SCHk [ 65 138 3ok i /N Ak S ) FE R 2 S A M S )R Ny T T A s KU AR R B 1 MVDR U AU A
D5k, SCHR[66 JHE S 1 BR ] Bl 2 14 Ja 45 19 250 a0 e A i 1 SNIR 52 3 1 B 310 10 Ak 18 P A7, 3 PR
A 2 DSB.LCMV .SDW-MWF 25 H A g 7 4% o (B9 7 6 A9 22 o T4 e #6077 16 1
AT IR LR IRAT 5 SR T O P st B A 4 2R W ok AR UL i, TR B A A% B I 22 v XUBR R T
W ETE o SCHRE78 )3 T Jo 4 A5 #e h BB HEROCR , £ X DSB 1 & 38 5 AT 55, 8 i J KAk i i SNR 5 fig
FELLAH 38 FH T 5 IR CL oK i 4% i 7 1 — P bR B Y 1 I 28 S % 5 ik o SCBR[ 77 148 i1 77 — Fh B & B 53
e A FE S A A7 %, e H bR s (14) 2 SRR3R AR B0 &2 6 pRAL, 2 0] s T IR 52 8 FORLEL
PERL I 0] R, 55 R FH P AL AL SR M AT SR A . SCHR L 79 DR S R 2k M R 1n] 4% Ak R 2 A Ak )
B, A T Ak R) BB R FH 53 T B (Steepest decent, SD) kR, E M 42 1 T — Fh 503548 R 3R ms ke b
AL RS I Tl T e A AR AR R 45 G o A X SD Bk o Sk [ 80 T it U iE —AME
BT Mg 51T M 48l 2 F R F BT — R Al O Y B A O s 7R R UG I BR — %
SR B 28 KRR B P . SCHR [ 815 T PAAH T REUE £ T BRI M S % & w X T T MV-
DR.SDW-MWF LCMV % Z i i o Wi a , dE vy 17— T A 42052 o IKURE 5 i) o o 15 TR HE 42

(2) 5T 53 A 257 5 4 B0 43 A 208 5 1Y 9 o SCHR[82 32 HI PDMM AR 55 2 e R AG AR 5 T 0
7 [ (Signal-tonoise interference ratio, SINR) , $& ! T A Jay BR T HRE5K B 30 Fh 4544 19 53015 X5 5 123 ]
PWoT . AR, PDMM 2 57 # 3f F J7 1] ¥ ( Alternating direction method of multipliers, ADMM) f4
AR, FEAR A TR X1 B0 A2 Y 2938 {75 B . ADMM . PDMM Al Ffi L Jii 7 (Randomized gos-
sip) SR S R P A 3 b T o 24 SR Ak T A 4 A R L LA R DU R A TS SO 3 S
SCHRL76,83-85 ] Ko HA AR DG SCHk o 3 28 43 A UAF 5 b SR VL BT F T8 3 4 9 AT 55, 9 1 STk [ 25, 86 ]
HENL T T AL F W 2 A 2 DSB ik X R R o A1 X 2 v IKURE B R 2 A R R LA R 0
G CIET NS

T B AR 4 14 38 G 2% 15 R M 4%, Bertrand % R R T 5 44 1 DANSE 5k TR AR LAy
A7 X RAE A S EAS T — R E RS . SCERE34 D L e 3T 270 s 8 F 2 H A Uil
ANy, I SR 5207 S A X SOk [ 87 1K DANSE 53 b H T H 3 1 43 A =X [ AT 55, 78 e 7 OF-
R 2 A 25 R S T4 b X MWF 5 SCHR [ 35 1K DANSE 5832 47 Ji& 246 % 4 $h 1 WASNs, 8] 1
A TE MR S R AT R B R AT S SE T A0 A 2 LOMV B R I B Ty kY,
Markovich-Golan % &1 % 4 1% WASN 2 H T 1 X35 4K 1 %% (Generalized sidelobe canceller, GSC)
1 36 U9 43 A SRR 5 SCHR[90 [ DANSE B4 ) 2R A Fh S5/ 1% WASNL SCHK[ 91 ]2 F n 37 0] 11
BT FARESL B T 3R EE T LCMV e A 40 A UL 9 56 &, OF B 1 an ol 97 i ) ] 5 A% 2 B 40
FNEY WASN A XF WASN H 4R HsR A i A7 75 a50U4 E 15 5 19 52 2 BE 2o e [ 0, Sk [ 92 148 th 1 — il 4k
P OR SN 015 5 vk, SR B SN . ST AR AR RS T DANSE SEHL .

SCHRLO3THE H 173 T kA b5 T B 4 20 A1 38 MVDR 9 s i 2 , & 43 #ii X DSB8 — figp
e SCHRL 94T S T B T4 H A & N 29 4315 X MVDR U8 4% , SCRF B (8] 1 3% 22 [ 38 B8 I -
SCHRLOS T4t T — Rl LCMV 19 73 A 2 8 4 B 1, G b de D0 D g 8 1) i o8 ) AR 5199 /0T HBRD, DATTAS
o B E P 4% 9 L S R IR B . SCHR96 148 T R T X ADMM A9 # B MVDR % S8 s AR, XLin)
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ADMM IEJ& PDMM W4EIE . SCEkL97 1R 42 )R B AR SC A5 B S 801k MW 3F 47 el it | ff AR 48 5
5 R DGR B A a5 B N T 4 A X MW E 35 7 16 58 07 1% SRR A5 T A5 5 4 o 1k e = TR) Y RS AT K
(Trade-off) .
(3) B T W BE 5 2] 1 o3 A 208 B Y o o T AR ke, 2 T R B 2% 2 19 22w XU 9 1 i 484 i U G R 8 TR
i 28 ) 2% (Deep neural network , DNN ) A% Y 1 fig i 47 31 A0 X 75 24 4% 36 pR AL 05 & B O 22 B 5 2580
BAS TR 2 45 % o A 3K 32 50 UG 9108 5 14 9 AT 55 U 36 B0 MR AR 47 1 38 FH A
SCHK [ 98 JF 5% 2 1] JC 24 A 43 A1 2 22 v KRR B, 4 10 T 2 T DNIN B A3 A5 A 11 04 43 A1 2008 2 1
D5 ¥ 8 R 0 A 90 08 S 0 S 4 A5 5 1R D 23 TS SR T B bR A EORTIR S Al o 228 ) fE R ST
FT Bk 2 2 415 45 DNN B, 3052 rp 22 5 XU i 109 728 Ak 25 5 BOBE AL g A5 5 4 3 R A AR Ak, DTG 5%
M) 5 1 SR A RIOR o BT X2 ), AT DA A G T R S 5 SR T R A Y 22 v (O A
A2 S EAT AR 45 2 250 ) L R 0t 5 St R 3 2 0 ML R 3 3 1 R, DT AT AR R 2 A 1 B
SCHR[99 12 7% 1 Gt p 28 5 ROOE LA DI 25 SR W BT T TR B ad-hoc I8 HOE 1875 75, JOA% O B e 6 45 5 5 18
T R iR SRR AR DF 4 L SNR FUE B AU AT, SR S AR T R B H bR U0TE A E s R B
A2 s KA B e AT IS TRDRT 55 DA P T  HE a T RO RS U LI 2R L
% 183 43 A X 22 v XU B A1 Jy 1 AT A P B DR U1 2R 9 DININ XA [] 22 5 XU 47 1 A 18 32 £k g 0 K
SRZ LY B 22 22 AT 15 i 400l 1) PGSO RO E SR BRB Z — 22 T KU B U 48 5 R 2 1 3 A0 T
PP A ) B O UL AL £ 2 558 18, @42 Bs (B RR A, B & 7 A7 B I B 45 25 ) {5 S, , ik SE e A iy
ok 22 22 5 WUAE 5 08 AR G 1 o BRI, 7 AN 2 22 5 XURE 37 B ) R B o SR [ 100 ] 38 T 38 18 4 5 L3 1B A
PR3 TE P ) 5 SR LT Al TR R R g, R R G K I IC A2 W % (Long short-term mem-
ory, LSTM) , Il Zh ¥ A 4% 116 Ff kg #0005 BB 4] (6% 22 e MBS 2~8 AN A48 ), i 348 i T DNIN X
Rz AL RE T ABIZ 5 o0k L S0 M 7R a5 R 22 v UG 2 T IR 80 45 2R R 00 A ARk B = it
(4) 3 F F 25 1] 43 ff (Subspace decomposition) 437 2015 & W58 . S8 F I RE il J7 7™ AR T
BB 3 1, DR BT 9 40 0 2 800k 37 f4 43 Ai 28 22 70 KURE B 3 35 386 50 07 125 A SN (B . Neo 25 10VHR
T Z2 W AR {H 43 f# (Polynomial eigenvalue decomposition, PEVD) B ¥, B0 % 8 T & w G 5/
INF AR S L ) P 23 B AR DG RE R Al 110 B8R 5 s ) o 428 IR DGR B 2y
R“.(r):E[x(n)xH(n* z')} (15)
K x(n) b QT FEH £ 4 s WAG 5 Kttt J BT RN HEIR o 25 B AR #4628 0o = 8 4 )5, & 19 PEVD
ik
R, (z)=U(z)A(2)U"(z) (16)
KU (=) ARRAE ) 2 2T B A (=) B SRR AEAE L [+ 17 045 Hermitian 5 F .
o 1G5 5 T A5 B SRR ) U O A #)
YPEVP()=ul(2)x(2) (17)
BEE IR R, B8k, B RR 20 , 7T A3 rankr 38 3% &% , i MVDR 8 3% &% 2 rank-1F¢ 7], MWF J&
T B g o510
T iEE G S e R A4 R E R B B, PEVD 8 GBS M 015 & (5 5 09 R ekl v oA
Up A G RE J o B, SCHRL 103 J4 PEVD 553k 40 g 2 43 A 222 v B 9118 & 3 o AT 55 . A T R# IR PE-
VD 5k Wit B A Q-F BRSNS AT 1 52 R FR I O T A Q MR AF S R R HPEVD &
A R B RS IO R T B A I O R R S AT O A% [ AP M RTF A3
X5 Bl 285 BE BIL Y 53 A1 20 E2 v XU 20 40 I 285 1 5 B0 23 Tl 48 SOME LUK T3 — Pk AR Pk 9] 8, Sk [ 104 )
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T SCRFAEAA 5 i (GEVD) 3 AR AE 42 % 45 W 45 sP Al 5 55 B 0 25 30 B , 18 72 LCMV 3% JOE 8 il
B TS 5 /M5 723 1]V AR O AR s R A 2 e B KT T T 4 1) 4 B T A v R A
TEPIR 7 22 R R, DA i 0 4% a5 ) 308 £ 49 1K o
3.2 EFNHXERTREINNFREEN

7R E AR R AT 5 A BAT R £ 2 AR AT S 2 — T N TS AR el A
HILAE B A AT, A R o R 7R TR A B AR A AT 55 (R v A IR . AR AL G & KBRS oy
A3 X2 v AU B B AT T KA 2 ) 7 R, LA R 0 R S R L RIS R AR IE R R i X
DRV 51 1) 7 18 7 o 2 KB R R 525

(1) 3 F #3508 18] ( Time of arrival, TOA) MR I E 7 o 6B A IR &0, o] ARG & 5%
ve RCEE RS 5 B9 B AH O B ECRE Al o F 75 R 20 22 5 KT S B9 TOA. 8% TOA %5 T ®AT B H] (Time of
flight, TOF) 75 5 & 5 Bk 20 R0 47 o5 4 SRAE I 20 ) = % 2 A, Hop TOF Bty 5 05 21095 s I B (5 8 .
IR 5 75 IR S 5 sk 2 R Y S R AR SR AR 2 2, ) TOA BARES T TOF , ok 1 75 I A7 B vl il o = /A E ik
A5 008 R 3% 7 i v R SR WA B, R R RS . Zou SOV B kAR S W o R T B SR
WIE B SR 7 TR A S A 2] B U SR A B 2 S B v HIE DA BRI, R A T S R AL E — A
Cobos %M 15 75 U5 S S Ak 20 200, 78 T 5 PN 3z ) BOBUR R SR s A 7 U R B 20 SR SR i 2k
iy T PR S AT 7 R A A6 5 At ATT 38 T BeepBeep 5K W [6] 25 A 11 75 YR Az S s 220 A0 05 R 4R SR B IS 21, DA K
WA DG P 4 T H s A L T TOA M 28R 75 R B0, 36 F TOA B9 745 5 A2 o 77 2 X i
MTESEMT R, EES ARG EEE 8 S B RSN Rk St Bl T 4 5 I R BT
Z0 CTOA FIS 5 07 8 19 R A A5 3

(2)3FH] A B E] 22 (TDOA) B FR IR E AL o FEBE B e i 3 5w, RIVAS U BTE o i, ] 3k 22 58 XL
SR E B E S N SO TR R TDOA , b 1 X 75 U5 & 5 B 220 A A . Y i A 22 v LT
MR — A R BB, Chan 2B AR AN 09 1 B A8 6 RA 1AL ME TDOA J5 7 85 1k o 4k
Ty AR AR E TR IR A E Y P 2 (RO I A RE RS B B T S M PR R T T R, M S e T
PAGE P e K e /M H AR BEAT — G R Ll Y A A E A k7 i b i 45 I, TDOA M3t 2 %2 51
JEL s SRR S 220 1) T e, DRT 0h 30 B R S 20 356 T 8 P 2 S RUE) TDOA b T4 75 I i i it
22 TR 2 B TDOA fH T ER R I 2, TDOA 58 (16 5 7 35 5 F 0 ok 5010 5 30 1F
P SR O eR B (e R LT 2 SR A ST A R U 9 B — 3 TR 2 ST Y
TDOA P I E A7 J7 1, Ho (A B s (E A B 2 e i 2™ R Oy i SR B A 22 v AU A8
AR i PO A B T A B X i R T ™ A A AR AN YE S H . LT TDOA Y43 3 IR
S S 7 TS Ao M AT TR AR S S B A 4% N I AT B S B DR E 57, B G T L b B
BT RN K A A5 G o DR, 40 A R TR 7 R S I BRI 5T T e 2 —

() FET e (energy) U IR ENL . B TOA B TDOA &5 i} 1] 26 R , 22 72 MIZ U5 5 B RE &t nT FH
TREEN . REE A B Z R IR ST 20 1 SR AR FE R 22 S i R S 500 T . e R IR R
BT, Meesookho 25 R I T — ML T RER AU MALR /N R TE L IFA M T R XY TR
(Cramér-Rao lower bound, CRLB) . #R T, 32 bR 37 5 b B AR 31 0 R B AR 5 IR E 8 45 3 55 5 50
S, wfE LA F BUHORS 0 8, B 4 1 A R 7 R B S AR I — R . B, Wang S8R H — b
ARG TS W, ) B A S 7 U7 B R A O R A MR AR B R BOR A, R TG vk B R H bR
BRI, 3 3070 R A 1 PR, Vaghe i %6 ULE 1 () SDP 4 AR SR Xl ™ AR A e G AT R
S, ARl M, Hu 25 52 T 32 T SDP (96 1 An bl o . ECSCERBEMR A P IR IR i 452 1R 28 2 o)
fil A T ARG BE DT BR ) 1 1 28 T 12k B P TR VRS B
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(4) 3T 837 160 (DOA) By 7 7 B0 77 o o 505 1 A6 2 Ve 20 2 i XL ) 0 W A9 44 4 049 o 5
P 5+ 7 Y DOA™ 990 6 DOA R B {0k A B A2 30 7 o 0 o A, LA 06 5 2
FE BT ST I O BT T vk A ) B B A O BT R R R A R L R
Dofgancay" " $8 Hi T 55T #4 P IR f /s — 6501k 19 7 VR 60 77 o , Wang 81548 1 T 36 b 8 4 57 10 A
KSR 7 e o R K BN 7 e 0 TR T R (A BE L3 AT 2 5 A S (S B
B2 o 2 T PR B B P A3 A 2 A R O T LT e, ek AR T G 1A o
2. Wang %10t H AR BB ABSMATR AR 4T T 5 KR 0 B . FIBETF TOA TDOA
RERR S HRAT , DOA B H 075 19 4 1004 R , (00 Jo 49 24 14 /0 ok 5 S0 HO0R 9t B A5 0 PR I IR
SEF DOA By 7 v 15 5 FLA BUF I

(5) 5 T 4 2546 AR 9 7T 26 00 57 900 % (SRP-PHAT ) (0 75 0 (1 97 o . 2K 7 B0 R Oy 25
R BB 7 U 7 L, 5 R BB LA B A £ 0 B o B A U R K vk
A2 A JE AT IS0 Sl 4% P Job I 00 2o 7 0 1) SR B 1 0 A8 O A A 5 R B 1
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Fig.8 Pipeline of speaker recognition based on microphone arrays
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