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State of the Art and Prospects of Deep Learning-Based Speaker Verification

LI Jianchen, HAN Jiging
(School of Computer Science and Technology, Harbin Institute of Technology, Harbin 150001, China)

Abstract: With the development of deep learning, speaker verification has made great progress. Compared
with other biometric identification technologies, this technology has advantages of remote operation, low
cost, easy human-computer interaction, etc., thus it shows a wide range of application prospects in the
fields of public security, criminal investigation, and financial services. A systematic overview of the
development lineage of deep learning-based speaker verification techniques is provided. Firstly, the
development history and research status of deep learning-based speaker representation model are introduced
in four aspects: Model input and structure, pooling layer, supervised loss function, and self-supervised
learning and pre-training model. Then, the challenges faced by speaker verification are discussed, such as
cross-domain mismatch problems like noise interference, channel mismatch and far-field speech, and the
corresponding domain adaptation and domain generalization methods are outlined. Finally, the further
research directions are presented.

Key words: speaker recognition; speaker verification; deep learning; domain mismatch; self-supervised

learning

HEEWMB: FE AR IE4S (62376071),
I 5 B #: 2024-08-09; 1817 H #1:2024-09-13



R F . ATEESIOWIEATIAT LA RILKBIE 2 1063

51

il

Wil RS I A0 31 DA e B2 HOR 08 K i L AATTRE I 7 <22 4 R B 45y I TE 45 (0] R H 5 50 4, (] A
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LR W i 0 5 o UG A A (Speaker verification ) J& MR 415 1 35 15 5 AR 06 R AF U4 5 AN B 0y A 75
SUER A S B A EREAR o 5T A8 SR R A B By DA IEF R AR L, B0 TE A
INGR R TR E 55 LU T AR nl U A% 388 5 T S 90 AHLAE B A5 242 filh R AR AR e , W] LA AT
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TR R R4 B A, LA 31 24 i i i) i 2 ¢ AiF 2% 78 (Frame-level representations) , 2 & B & i A 18 & B
v T A B I A 3 T AR g BER RS AR 27 (Segment-level representations) o Fifi i , Snyder %/
H x-vector FIF Fn A 58 i 5] A G214k (Pooling) J2 , BB A A5 AU b BT 355 K B2 09 4 A8 35 BE L Lom
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(Magnitude spectrum) . 53 ZM A5 — BRI (1) W 265 B H2 50 AR GR 09 75 15 5, il ad P45 jif L2 9 2= > 3k
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| oxT
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——————— CxT
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(a) General framework of ECAPA-TDNN (b) SE-Res2Block module

2 FET ECAPA-TDNN [ 45 (1 L35 AAFAE 2 75 AL A
Fig.2 ECAPA-TDNN based speaker representation model
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UEIE A B AR . Ik, 5 SR R AE AL JZE ] AT VR B HLI R 27 20 45 A Wi GRHAIE o 1 A R
AR5 . REE A WIRARIE RN b B NE S N k=12, K, i KAFEE S5 &
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BEHHLE . SRR

s'Ch)=(0")" tanh(W*h, + g")+ 6" r=1,2,- K (4)
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#5 18 FH BRL Sk 3 B T LA B
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i KA T T B8 7 6 B R 22 0% i 10 AT B0, B T 5 50 0 20 0 B 0 04 7 N G 26, D
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T € RO DN 0 BE G i 36 a9 48 13 15 WA AF R (R 17— 20
1.2.7 39 %HF%KEZENFHENE
152253y W3R 42 3k 1 7 1 - #9146 J2 (Multi-resolution multi-head attentive average pooling)"*'rft | /£
B TR E 2 BOR 45 AU 73 BC 19 73 BE 38 Softmax sRAUE R
. exp(sf/r,e)

a, — T
2 exp ( sfr/rk)
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Table 1 Comparison of various attention-based pooling layers

k=1,2,-,K (13)

Ik %3k b 22 4Efz—5 i B 23
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Hk R gLz X Vv X X
ESSES - IR SRRl Vv X X X
BT 1 41 236 T RO F L= Vv X Vv X
LR L KT I AR Vv X Vv Vv

1.3 ARERREH

R RBCIEAR R AR FE B T & N 1y PERE , B DLIEFE G S i UK sRAUIR 22 . i T U015 A B
NI — D522 20 AT 55, R B Fi R B9 4 2% pR BCRR BE T B2 i 2 ) L AT LA A IS — S A T R
25 KU (4 451 2% (Pair-based loss)"'™* | 55 — 24 J& 2 T[] & 19 Softmax 1 2 (Margin-based Softmax
loss) 47T K 43 900 A 28 33K 20 K pR
1.3.1 A F RTINS FEHT K
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TEAE A SO M A 30T T 0B A X M T8 8 . X Ee 48 2% (Contrastive loss)' ' S JH v 5% i 8L 147 00 A4 — il 4t
2 PR, VAR« (1) 3 B— > TEREAS X, HCF B 9 43 2R I 12 55 T B AT TR AIE 78 22 8] A9 BRCER IR 25, e/
A 59 2 i /AR TE AR A X 2 T A B B 5 (2) BRI — AN S REAS X, IR 4 B AT 22 [l A B 3 07 L AT B K,
R T HA G5 5E BB m, W 1R U 25 o AR X — JEVARL, AT A2 30 40 R O A9 0 Ee 46 2k

L= z]d,ﬂr 20[7n7d17}+ (14)
Vi— Yi—

e d 2om i M j Z A BIBE S 5y, = 1 RR X P REARE T 1R — A Bl A BUEREAR XS,y = 0 KR XM
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X LA % A A5 TE AR AR X 22 T A R Rl B A9 /0N, SRR AR X 22 18] B9 B R AT RE R . T = o 4L Ok
(Triplet loss)"**" ¥ JEUAR 2 670 B AR X 22 i (3 L 288 K T TE R AR e 22 i (Y B B8 o 11 it v 2 [ 8 B
— X IEREAR TN GAAREAS , HLIE SRR AR XS iy — A REA SR A R A9, B O il 5 (Anchor) BEAS o LA 2k pR 0P
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N

1
szzzlog(lerxp(dﬁ*dU)) (16)

N= <
Ko d, RS A BT N2 5 B ASOREAS R E AR A 22 0] I B B 5 o, R Al ORE AR 55 55 A U038 N 28 51 vh 17
BEAZ 0RO BS . N-pair 5 2 36 I SoftPlus #0 B8/ (&)= log (1 + e ) fU# T hinge B& ¥, 7T LA A 3% 2
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R
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B T 5 T RO RE AR SR TR KRR, A 1T LA L R RE AR HEAT 40 2 U IE REAE 2R A L i £ Ak
SN2 3 S R, 22 43 2 ) T DA g /N B8 SIS SR DAk B B, I LA Softmax Sy it 2 08 380 pR S
IZ A PR fRT FR R Softmax it 2K, B L F

1 X exp(wix,+ b»)

N&= 2 exp(w;.l‘x, + b(.>

c=1

Ky, €{1,2, -+, CYRFEAR 2, UL AFR 2 5 C Ry U Z R v i 3608 00 880 Nk B 0% AR I /N iE
FEAR MR ;w BN IR G — 2 R 2 AL ) 450 NI & . B AR Softmax 51 28 AT LUK AS 8] 358 3% A Y
FEA AT A R 3 AR TCTE 3 — 20 0/ N A () 5608 AFEAR Z [ A BE B8 o Rt BIF 98 3 7 Softmax 451 2% 5]
AR R [ B (Margin) , LAY 58 28 18] o] DX 70 PEIF /N N 07 22 0 1 T/ 28 PR e i DL 1) ol A 1) ol
{1 Softmax 5 25 « il 4 [A] B Softmax #1 % (Additive margin Softmax, AM-Softmax)"*' Fl & i 2 8] F&
Softmax #12< (Additive angular margin Softmax, AAMSoftmax)'*",

i a] b Sohmax?ﬁ%[%]f‘ﬁ){%w*ﬂxlﬁﬁﬂﬂéﬂﬁ,Jﬂifﬁ(17)4313‘J|7‘]$Rw},‘,x,$ﬂw}dﬁﬁgﬁﬁTé‘?
SEAHMLEE IE 3X o SRJR 18 cos(w,, ) P EI A — A1, B cos (w2, ) — mo Bl A mIG AR 2,5
H b5 20 B w,, 22 8] 08 AR ARLEE A5 43 358 23 080/, DRk D) 4% 2 Ak S AL LA o, 5w, B ARARLRE AR 223 K
AM-Softmax i & B JE Xt F

1 &
L=——>1
N,Z‘l o8
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exp<s<c05<w_},r,xi>* m))
exp(s(cos<wyl,x,-> — m)) + 2 exp(s(cos(wt,x)))
e=Tey,
AP s S — AN R, AT LAB 1k YIS s A B A o

(18)
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M A BE ) B Softmax #5261 AE A BE BT BE , BD K X (18) b i cos<wy,,x,>— m BN
cos(0, ,+m), A

b1 S ool o)
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Ko, Fom w, Ma, Z 01

TE 52 B v, T ] B A Softmax #5128 J0 75 52 2% (9 TRE AR 26 9% SR M, i) EL AT DR A AR 4 19 25 21, IR
BCA B R TE A RIS R
1.4 BHREEFIMANEGER

& 5 3 T VR JE 2 > 1 DR R AE 2 /A5 1R 38 5 LA AT W B 0 O 3OMCSk T IR U 2k, (E g 4 K A A A
Uil A bR 25 (1 5008 IE 7 RE I, A7 I 38 25 6 T BRORATRD . PR I, DA SCHIE A B 425 Ji V5 7 104 s 285 0 P 8 45
A R [ W2 ) (Self-supervised learning) H FR32 B 1k £ 19 56 37 L 338 A A b i
FI W 2 2 AT 43 g B S He R He RO S b 2 T ik R — A A — RS
DAL AT LA B[] — ) i 55 v SR AR TE R AR X 5 [ A3 A TR) 1) o 5 6 2 R [ 4 06 37 A, DA 7T A SR 75 1)
FOREAR XS o i, 0T LA T AS [R] 69 % A5 2% bR RO S5 /N E R AR X 22 [ 1) B 5[] B 5 R Ak £ B AR
it 22 1) A B o B i P L B R B R R AR =2 IR A s B e K AR IE AR A I R M T AR 2
T 4 A L0 Sy o R R o A 3 ) A T L e AT DA SRR I8 AS [ A B e =X DA RAIE
TEAEA RS 22 [0 (9 6 5205 R AL 5 153 55 G0 B0 0 e ah , A7 28 oF & IRt /N B B0 1) 2 R
HIF 55 3 34 3R FH 3 25 B A7 19 07 SORAF A K i 1) S b AR

FRUE L T30 e 2T B ) W O 9k AT DAAT A 2 o S TE AR A s (LA B S [ 1 40 2 AR Tl A9 g
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UL TG NRFAF 7R 25 48 B 2 (B TCAR P AR R AT 24 20 o Ah , TR AR 2 19 [ 2818 J7 1 (Self-distillation with
no labels, DINO) ™" # ik H BT (49 35 30, AL 35 2 2 R0 95 A S 47 9 4, ELAAR SR n P 3 e s . 3l
SRt IE AR AR KT 43 A 2 A RO 4% SR T

T /LA T 26 0 18 404 1 58 LI . R AL BT ‘a - ¢’
g (X0 244 388 3 B B I 1 A 4 O T T T 2000 1 , R

(19)
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%: DIN() ﬁff% ILH *H J—\jz E,(J E&iﬂ“% !H%'SMOW R /ﬂ\: EF' , :/;_..'..'.._.._..'..'..'.._.._....'..'.._.._..'..'..'.._.._..'..'..'.._.._..'..'..'..3__' ET..'.._.._..'..'..'.._.TI.'..'..'.._.._..'..'..'.._.._,E_\:
i DINO J7 35 1 252 80 ) 1 6 080 S F 4R 550 4 iﬂMﬂﬂM@WﬂWWWﬁTWWWﬁWWW?
E BB BRI R R R e REREAR F_m%%% __________ ;
KM AR TR — AR A . RIS TR 5K [ S R ]

LT DA SR AT W 2 3T 9 7 2 7R ) AR |- 4k I

SEUIZE LA B S AF OB . b 3 A R A 2 --IIIl---l|||IVIM----'-'---IIIIIHI |||umu|w-~-'v--»vlll\ Hlllw ------------ bl |||||]|\n"|'-«u||"-

Yk Sz 25 14 7 AT DL — B HEAT R &, B o AE

O Bl R T — B4R T RN T AR I 1 5t /3 3T DINO K F B il ATk Jr i

rf, P bR 20 BT D T R AR B M - Fig.3 DINO-based self-supervised speaker verification
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PRI, BT N B D30 R I R s B A8 o AR IRCER A 4, 9F 5% 0 DA FH 3 )1 RS 1 v R D A
OV AN SR AR AN 0 B 1 R AR BB G P AR s DA B AR I e R g B A R A Dl b
HRHUAS T i — L PEREEE T .

AT AR SR, KA T 5 TN A AR O 52 B T 792 6 BF S 1 S A K AR T b v A0 b )N A
AR5 HW T AN R B 15 R AT 55 o B TR BOUI SRR AL B SR AN T s B 4 s o R
T AR i E Wav2vec 2.0 45 8 35 I 2545 B A% I o 7 00 57 R A Ak 2 RN VR )2 L IR AE R I DTS 8K
WA LR SE W] T Wav2vee 2.0 A LR T 3036 ABAE S0 i FiES PR uis AR
LR JE B A5 B, 1 3 F Transformer 2244 1915 3 W ZRBE A0 3 LA 42 40 2 R 9 K BHE B, B L F 98 5
I 50 I 0 A 00— 26 35 U2 DA S S B 0T B S U 45 9 R W0 L R R T I 4k
15950 I 3 il FH ECAPA-TDNN [ 4% EL o 30 oAb A SC R 98 2 00, U is A5 B = 2 & 7 18 35
T ZRA5E AL (1 7 )2, R IHOKE T 3 ECAPA-TDNN B i A H 50 I 2585 B 104 B S5 — 28 48 0T A )23 19 A
A, AT DA — A 4R T AR A O PERE' o BR T OB B ZRA R B B A Transformer W45 BF 53 % % 31
BT 55 o B9 Conformer I 25 70 [ R A LASE T 3635 AT 557 33k 2 W38 35 R0 Rt 3%
NARGME S vl IAE — @ R B EAI AR #F . 1t 4bh , Conformer £ Y v i 45 FRUZ A ) F 42 0 15 35 (1058
VAT Y

T W R

Gorvad) Crmr ) CWosi )|~
S

P4 708 B SRR A LIS N BRI 7 Tk

Fig.4 Speech pre-trained model-based speaker verification

BN GRAR ALl 7 =

AEEBIIR |
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T
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AL EHRIEZ

—

ECAPA-TDNN
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AVl B E —

2 ETREZFINEEIEIEABIAGE

WOTE N FFIE 2R 7R 15 B ) A2 65 Bl AN UC I ) R0 198 0, 97 348 60 3ol i — M 50 R A ik S B3040 1 4B %
Ay AE AR B R v K A BEAS (4 45 - PR (Source domain) Fl H 4738 ( Target domain) , J5 18 &
R 2 3 AT KR A A T O 0 40, 38 R R S I R N R A R R AR 5 R et R A A 4 P A
R 4003 o VR SR bR s A B T LGz 3 T ORI R S R DG NG OB R R 2 AR R, R Ik
58 35 52t 45 b 7 36 o i D B B 0] A AR A B AR U 75 A U SRR P I Sl ) 43 Ay 4B G
SRz A . T T A3 A 28T A DA sk 9 28 ) A F 5 BR0IR
2.1 SEBER

U [ 38 B (Domain adaptation, DA ) J& 8 45 H A 38 1 Y11 2 E00CH B 16 5 358 T I 24 4 1 150 36 N R AE
TR F 3 R F H AR IR b BRI U 5 B A R T A 4 SR R AT S A R B B G
B U A 3 B (Unsupervised DALUDA) o 5% 58 4 T s BF 5T 3 07 1) A ] 7 2 L D638 Ak
P14 450 358, 38 N7 — A I 2 ) R, B YR 0 E b 3 ) 08 3 AN S8 N TR] . 3K R R A R IR H BR sz
[ 156 178 A RFAE 22 7R 43 8] 1 22 5 R A0k A AN DL e, 36 o [ Ui iE A 25 5. IR 3 n 1 i e i 3 A1
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A b 4B 3 N R) A K BE . R, T2 A0 T e ST B O R RT3 O 3 2K B X 5 (Domain
alignment) P52 13 (Pseudo-label fine-tuning) , LA K i3 4% 4t (Domain transformation) . % #8675 1% 43
Iol) AN ] 14 3 B2 DA R AR B 2t e AR TS AL A H AR b i MERE A5 5 0 AT PR A i A 41
2.1.1 R TAUBT g4k B & m 5k
U 55 388 o e /N A IR AT H AR B T N R 3R 8 20 A 2 TR 22 S, LA 2] — S IR IR H B 40
A7 — B 2 IR NRAIE R R 28 8] o HA R s BT L3RR
L(D,, D)= Ly(D,, D)+ L, (D) (20)
K DD, 43 50 R P I H AR 5 £y, Fom IR BUR B bR 302 8] 0 53 A 25 S 4R B £, RN
VRS b A W B BB B, 1B AM-Softmax. B R SRR H R 8 22 ) B 0 A 25 5, Ganin 25T
A3, %t P A 22 W 4% (Domain-adversarial neural network, DANN) J5 3% , i 1 — > 3 51 #% ( Discriminator)
o 24 ok i i R IR H AR 32 ) Y TS BICRE | TN 4 A% 4% 55 80 1) g 0 3 ok B EE I #% 2 (Gradient reversal lay-
er) AR HT AT 2k FE R 25 . DANN @7 1 — 3 A HE 22 e b 24503 15 38 1 [ 80, O 1 F AR B2
WA 25 . B S, Wang 25758 DANN W JH 3 i-vector ¥R F 75 25 18] BL 2% 3 — M5 1 R 48 ( Channel
invariant) B 3635 A4 0% 4% . AR, Luu %57 30K DANN B £ x-vector H, LB AR [ 2% 1 75 32 > B
A X VR EA R U NRHIE RS o BR 1R SR 2 WA WF 8 A 1 2R iURE 19 46 ( Generative
adversarial network, GNN)"*"'H1 ) |z #4525 1 2k (Inverted-label loss) 2% > DANN, ] L1 g 2 i) 25 1 2%
PR T R B £ B R T AE S RS G AT A R b A PLDA A R A 3 B A R AR
TR R m oy An, B AR ST & AT 146 DANN H I A T 28 4 F 4ii5 %% ( Variational autoencoder, VAE) 433,
DA 2y 302 S T N R AE R A5 A e A
B T DANN, i i i 16 f K 3 {f 2% 5 (Maximum mean discrepancy, MMD )" 45 4 5§ f5 /1N Y5 58 1
H b R E 3R 78 43 A1 04 3 B8 A 2 — s 00 5 =X, HE SR T DANN I PROEE (9 Bk i . MIMID 9 4% .0 S8
AE R 38 o A A R 1A 7 =5 18] (Reproducing kernel Hilbert space, RKHS) Hv 8 {8 #x A S B 1 7 A4~ 43
AR 22 5 o FESE B, MMD By T 5030 o 4% oR BIOR 7 Ak, LLRE S B 4 7 5 48 25 (R P MR i 42 e itk . BLIK
Kl , #7245 % RBE R B £ (2, y), Ml MMD 0] DL R 7R A
Lo Do D) =B, p[ k(2.2 ]+ By k(5. 3) | = 2B, yon [ k(2. 3)] (21)
o Fily 43 0K SR DA HARER Do IS BT, Lin 2 S YO MMD 31 A F 4 5 4% (Auto-
encoders ) [ 351 2K pREL T, LA 2% 2] B5 15 Fp R AF (Language-invariant) B i 6 AN FRIE R R o BLAM, 8 H T
VB SRR T RS ph A () S I B 2 VRS AT O 7 ) R e — AR R T T O IR RO PR RE S R
WCHE Y, SCRE S FH MIMID (] i 24 SRt % R B R E 22 78 14 43 A e 19X 6% o 31 2 ARl 3 4 4 =2 i) 1) 40k
P i) Ik % SN
ARG S 5 v T LU R 2 R AR B0 A — B 2 SR B A RRE R 25 H] LB i T s
N A R SR A B 3 N2 50 58 A AN TR PRI A X6 SR IR R H AR 2 T BOA R B TE RRIE R
715 BB ) DT ARG G X 2003 A A 7 o A e e i vl T, L 6 5S4 o A B 8 2 Il o ke 5 UL A H A
3, FL b PR R 2 ) v i B — A SRR SO BT AR IR R TR AR R IR B A 2 . i TR BEUR B AR A
g 2 ] v 3 A S 28 501, B ) 306 3 N RIS (] 35 A, DR O H 43 A 22 5 58 4ok AN DE e, 3 2o
5 25 1) v AR A MIMID 48 4 BV 5% 4080 3 7 o FLAORAEZR A0 181 5 s, 5™ A s 43 331 28 7% 1 35k
A TR 5E 36 A (Within-speaker) F1 A [d] Ui 3% A (Between-speaker) (1) # BSREAS , £ F1 £° 43 51 7% H b ds
A ) 35 S ) S5 A PO B AR o BRI 2 A, Fu 20 B 0 5 IR sk R D b SR B 0 A B — B
A ZFrge it AR T BE R 34 3 N7 A R o
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VR RIS A M P(s™)
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EFRBRA B ASMAP(™) 1 s i L By / I
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Fig.5 Distance distribution-based domain adaptation method

2.1.2 K THARERPEG AR B E Lk

A BRI A BE AAR IR 4 v B A H AR B O U5 S I 1 1855 N RRAE R AR A L )
(4, 6 TG e B U 3 N, AT e AR A R O B 25 R 1B AR A 2 s AR TR ) 5 Ok S8 R AT e
I8 R o Bl b 285 B 08 0 A AT L AR (9 U8 B DA B B v o5 4 . B4, #E VoxSRCHY H 9§
e, AR 53 2 B8 AR SR T T DA 28 O] ) 51 f fige phe 45U 19 365 17 1) o O 2 1 B A R A 28 o i
FH B SR 1 U8 3 A i B H s B i A 8080 A9 T30 AR R, O 6 T 1 R 2607 B A H AR
BOREA N BCME— A D FR 25 o A3 BIDhBR 455, E AR SO0 A 40 2% R KR

L(D,.D,)=~L,,(D)+ L, (D,) (22)

Kb L, (DAL, (D) 73 37 PR H bR E A4 A B 452k o6 K, 4 i AM-Softmax. 78D b5 2% i3t
A 7 b D bR 2 1 5T e R A RO IS B R IE ROR B AL M RE . Rt W A — N AR SRR O v
DAP= A T Y E RO AR 2 . FE AR Z R ik i T K-l (K-means) ™ A2 I B2 5 15 (Ag-
glomerative hierarchical clustering , AHC )™ "™ {4 fe Stk R A7 201 DRIt HE 1 5 6 e 19 58 30 3R 26 D
2o SR, K-means Fl AHC H J2 {5 53 A H 7 FEA Z 18] 59 0 B 0C 38 , B0A 38 0 5 JEAE AR 1Y Jad B 465 4 £
B R AMEREABR . ik, Chen 2514 ] Infomap 5825 07 ¥ 0 51 AKEA (9 )5 3 45 4 5 L 5 Li 45100 4
T — Rl PR R T i MR R A 1 kAT AR A5 B LR FAR B DO RR A o e A, L AR R
P 45 FUM 4% ( Graph convolutional network , GCN) S 425 Hi B AR B Ja 350 45 44 5 8, , 18 ook 76 T ek b )1 2% 5%
T GON R R FEBIRY, W] LATE H ARk b 2R s ot O 2

H1 T DR 2 S0 75 v AT 58 0 AT AR B0 0 TR RO REAS SRR 25 A5 R I B IS ARG RS SR . it
AN ZITEEANZ SR A 3 N TR AR [ R S (R %07 s Pk BE ™ E OB T O AR 48 Y BT A L T HL 22
W PSR H AR oA ] B — B G &R
2.1.3 AR TAUBAR AR B E R F &

HT T e A I 2 K B0 3 RS A/ N L TE AR T DA okt 2L A8 DA D5 Sl S I ) 358 3 AR A 8 7 A 28
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M JC¥ETE H AR S8 b DSk IT AR I 5 o 0TI 46 T 3ok 110 JEL AL S0 2 ik 7 A iU 284 2 ) I 5 I s S 8 i
ZNE] ) — A WG, SRS TE IR e 0 10 5 D0 35 A AR B — B0 FE A bk U B A A v B e B H bR,
PASE et F AR B 2R 80 (94 78 . Shon %51 F [ e [ 45 % #% ( Denoising autoencoder) 4 5 38 (19 i-
vector FfIE 2 75 e 5 2] H A S8, 1 25 & e 5 19 A AR TE i-vector DL K B F5 B0H 19 TEAR U i-vector KAl 1T
PLDA H# 2 $, Nidadavolu 25" "V FIF 35 45 1§ % ¢ 4% (Cycle consistent GANs, cycle-GANs) !4
72 5 KA T 00 T8 38075 2% R I 0 3] W 3 15 0 B bR B, S 56 3R W AT R T x-vector 155 U TE HEL TR AR 1B A%
PET B PERE . BESE, 1 T cycle GANSs ARIUIEAT IR U RBCH , DRIy ik S 75 2 T i 4 D05 A A 2
v R LT 15 3 T B8N o 76 JS S 0 v, B9 A8 R LT R B0 A A M R RN e ) 37 5 of U4 T x-vec-
tor 5% 5 F R 7 TR 00 45 B A OO A, Su NS SR B 19 4 BIUBE % 45 R ( Diffusion probabilistic
model, DPM)"' i — A48 T4 1 4Tk A% 4 i PEBE o B 1K R 800 A 0 3 E b SO 5 I U8 TR N RRAE 3R
AN AL A E ST R B bR SO B e 3 5, O A TR A B BT N RRE 2R s B A 52 i H bR B
SRR NG NP B R N 2 S VR NG & X (T - i M L [ S R S S & 7+ ) B = W E B Tl VA 1}
RoR

AR U 4 v T U R D B bR SRR 2 IR B 1 ) A (E M e M B RO T I 4 S B B
FRAERY BT o b, IO 5 PR UE 5% 3 5T 5 D038 A5 B A — B0k (8 FT Y I A AR A W 5 18X — A
2.1.4 S5

bR 3 U B 3 N 7 1 43 ) DA [ B A RE R R ik e s B 3 N IR R, A A Lk . R 2TF
YR LG Tk 3 Ty o AE SEBR AR v, WA AR LA 0 07 37 S RN R SRR R R 3 0 kR Y A Y T T
WA LGS & 2 Fh 07 1 ok 48 FHREAY A P BE 1) 40 4 450 6T 5 R0 PR AR 2 0 T R 25 A, LAt 4 R H bR L
HR B A o i R0 A R TR S A B e I A — B o R

F2 ETREFIMNIREANTISBERFEILL
Table 2 Comparison of deep learning-based speaker domain adaptation methods
J5 AR =) B A
X 5 5 A B AR ) UGS S AR R AR Sl T S B AR SRR O A R & T
NAFER R A A B B B 40 A0 ok, N AR i B AR RO R > R AR 1 IS 0 X BT R A O
Pabn%s AR B bR B 19 P AR & 0T BB S 4 R BAR B TE AR 4 5 52 P BR A8 B e (S TR, 22 T TR A

U S

TR O PRI G g A F R IE T T T AR R A IS FI B Jsk 8] fr) — B 56 &R
B He DA B R B e B E AT A AT TS H AR O GRS OB T AR R e T e Ok
o BRI LY 5 B Al 25 4R FT TP 4L Gk A 38 N AL

2.1.5 Rtz

B T bR 7 v 22 Ah i A — e 5 i I H b A B 2 R ik pke A5 B8R 1 3 O 1) A, 451 4, Wang 25OV 4R
H UL TE N R AE 267 AR B Hp gl AL T 5% 1 30 (Squeeze-and-excitation,, SE ) Fl4lt 5 — 4k (Batch normal-
ization, BN) i id Bt %% (Adapter) B, JFAE [ 18 I 0 A8 v [ 8 vl 3% A REAE R A 28k, B H T8 i ic
A HL ISR, Dk S P HLR AL 9 BT B Y . Cumani %1 B % 5 5 45 40 42 GE Y AS-norm
J5 ¥ X5 B E N AR AR R R AT H — Ak, AT DAFE AR 80 K s 3380 AR 19 i £ N 32 HE B AR L vk g .
2.2 Gz

PUA LT U 3 7 A 8 SR U N A T YR AT AR H bR U0 SRk B R BB — H AR 1R
B AT PERE o R T E S5 BR N AT g T vk S5 e A5 0 DU S0 Y T e s O WA B — e I R B A
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g e, B 5E A4 4502 16 (Domain generalization) ' 75 ¥, LIS B o 77 [ 18 I AL B8 76 A &0 H A
A RUFIZACRE ) BB o GUSZ A6 T v B REAS AR B2 I 2 K080 vh 6 5 224 IR A A A 1 I R B L (2
BA BRI EE . A 08 & b BT 3 A5 8 2 S B0 TE A B DL R 5 58 T oG iy A B R
T AR E 2 s A B AR R H AR B B A R Az AR RE ), 5 A AR B ko e o B 1k g 1 5
IEPNG S IE] EE A =N N2 R LA TN = SN R S MR R NG b AP f v i D N N G LSRR A 2 S
B b 15 s A AR G 5 450 A B, AR T 43R ¢ 3 5 3 58 (Speech enhancement) A48 7R 2% 2J (Domain-
invariant representation learning ) \FF1iE fi# #5 (Feature disentanglement) o
2.2.1 ATEFHRGABEAT *

T U5 SR A 7 BN Y A R
3 — S AT A DT I i, 500 A v A ) 26 A Y Wiﬁga{iﬁi@ﬁ L5 AT
MR 7 B R R 7] B . TR 6 T, i gk ) ErAiie
1 AR A A FH I T U A REAE 3R R 5 R
T, AR T2 K A A0l MR e BT
T U R AR 2 7S 5L A 2% il IR RS PR B
TNERREAS B TR A

TEMRZ 7 T 2 T HE M (Mask-based ) i 7 & 14 5 BOR 52 BIR 225G 1, FOAE TR 35 BT i R v 1 )32
J5 1 R B ARG A PERE o %07 1A A DININ R AG T M 15 7 4 I A 8, O A K A2 R B A T
TR o R0 TR P T A DAASE IR R L ST R A R R A AT R Sk 114-115 ] 3k —
A B R RE TR A 1 1 R AR BT A AR B IR S AL, LATS B B S T B0 BB R T
R o

B T 4t T~ i A ) T B R T g A — R T R, B R AT MR BRI S X A T
ViR . B, Plehot 5 I 45 T — N3 T DNN B [ 4 5 %%, 8 12 05 Ak 5 /Nl 35 7 15 22451 2% g e
TH R R R A R S ) T L 4 T e, O G S g W] T 9% T A E i-vector FRAE KRR B R ) A
Rtk . Novotny 25822 T 550 ik [ 116 1258l 5938 98 5 1, 354 O T T xvector #6550 [ 1 2 44
SR S 3, OO 2511 358 5l AR A7 33 , I 6 P 8 Bl B0 30 28 38 B 3% 22 % (Modiified group delay cepstral coe
fFicients) A S A 7 35 45 A, 592 56 2 B ] ) 496 o6 1 32 3% R0 AH A2 3% mT LA ok B8R B PERE SR T 141, Gao
SEPIRIT BT UNet 424 B9 1 35 50 00 7 5 , I 76 T8 35 189 SR B R 6 36 A RRAE 2R B R 2 i 4R A — A
DenseNet 55, LB 1k 1 5 3 58 A% e ask B 48 517 04k 1 35 AT 25 2K 0 15 B o Kim 267V i — 20 4 11
ExU-Net 4844 2 42 T+ T UNet 15 ¥ 5y 58 J7 5 B PERE | JF 60 T8 35 B2 J 450 2% R 35 10 0l 401 ORIk &
I 63T N E 3 75 55 780 R 3 35 SR AR B . Mia % B T — OB BE A AL L L LA 3 T UNet 35
R AL T 7 A N T

BE A AL AT BIF 55 3 P A B 9 2450 0 B RS OO A gl 3 TR SR A5 B 1 08 S B T v
il , Michelsanti 45 F 4 £ GAN (Conditional GAN) 2% 2] B M 551 33 51 14 451 3% (1 BT o 4% 1
GAN HY 1A Az s A 1A ) s 4, I DA 07 AT U2 o A pUade FH Ot 1 sif o MR A%, 40 o1 2 D0 12
A WA Ay 2% P 2 20 DX 0 M8 s A0 3 5 % A A o Y u S A R T DI 0k K A e 7
BEIARIE R o BE A1, Dowerah %55 HY T 5 T 4 BIOBE 56 4500 (1) 195 Iy B DA 38 90 Ik L 158 — B B
YISt G SR AT TR S W Bl ] B MR ) B S I 2k ECAPA-TDNN B AU 1 3 3G 5 485 5k
Kim %75k 7 BOBE R B SR 83T T — Al B R SR AR B Sk ik — 2B L BRI

FL6 LT it 30 i Sz A i

Fig.6 Speech enhancement-based domain generalization
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2.2.2 ATHRRERFFIGRBAEZMNT &

SCHERL76 RIS T UE B, G SR AiE 36 7R X A ] 4033 PR 15 AN AR L TR 4 3k B R AE 36 7 3 2l 89, o] A
IE RS B A T . BE Tk — B, AT T B T IO AR R 2 2] 1 Uz A6 Ty L e N BT N
FROE SRR AE Z AN PRI 2 ) i 22 5 AL AE R0 B AR A RAFA9IZ bR ) . (A EENE X T ILH
B AH TR 0 35 AN AE AT A B s | 5 U T ik die /N AS TRl U R] 1 28 5 o S B AR R R 2E 2T 1Y
— b P 7 X 3 e A I B I 4 0k ok 3 AN ) D i 3 AR AE 2R 3 A . B, Zhou 25T
BE TR PSR AU 43 2R 10 Softmax 458 2 VE Sy J 51 1 08 45 % bRER, fe 27 > X R P I8 AU B8 1 0 1R N ARRAIE RO
Meng 26125 P 5k T Ik 75 25 780 145 W8 1 43 25 19 Softmax 35 28 V8 S 3] 51 2% 1O 453 26 R Bk DL 2% ) & 08 1 i 5
ONERE R o B 7 450 BE I 5 , Kang %51 A5 SO B9 #A B Hh %, 3 1 J5 /I Ak U0 30 A RRAIE 26 /1 5 40
PRES B TAS B, ok F5 BRI AR 2R h A 408815 B s Huang 5% 78 338 A RRAE 3R B8 v i A58 B
241 1 88IE FiE A4 (Domain adapter) , I 1 45 i e 5 > Fill G [R) — 100 35 A 78 AS [ 6 48 i) 150 3 N RRAIE
TR VIR THAE RS E bRl b 932 AL RE J) 5 Cai 2515 13 /b [7]— U838 A8 AS [ B SR 58 T D636 A
E 22738 22 1) 9 A 1 0 180, Sf o > W 7 45 8 A 00 AR AIE 26 /% 5 1 2 9% o % 5[] — 10 37 A AS [ R
A BRI ok 2% o U AR (Y BE TR AR IE KRR .

JC2% > (Meta-learning )" g — i 12t 2 2] U] 2 o5 7 Sk 32 THRE 02 AL g T B9 BER | & 78 % e 451
A B AR A T o o057 2 MG VAR K 2 A /IMT 55 vh 2 o) BRTE BT 55 b PR il i i A A . 78
Gz A PEEAT UE AR S AN 8] 0 /M 55, 1 H bR SR — A8 0 R WU (AT 55 o ek 7E 2 A PR
07 JF I8 2 2 YN G555 R E 2 s D gl i 75 20 A 28 A0 635 AR IE 67 o A, Kang 25 4 17—
A B TR G 24 2 (Model-agnostic meta-learning, MAML) #4038k 72 1k 5325 , o] U445 78 K A0 B b5
B A R AL RE J IS AR KRR . Zhang %R T — R G £ 2R 2 ) (Meta representation
learning ) 75 1 , i it 44 38 224N /IME 55 U1 5 19 07 2ok 1 AU AL 6 7 o b Ab , Yang &0 i T — 4> 3
TR A U ) 25 RN TR G I 45 1 T 2 HEGR, DL o SRS AR Y B S AN RFIE R OR .

2.2.3 A T AL MRAR ) B2 AC T K

FEAE i 4% (Feature disentanglement) f& 53 — i F A9 450 8032 A6 v, o0 AR 23l ot — AN Ui A
£ i X 245 R — A 450 358 G 88 1) 245 3 53] 2 >0 100 18 A SR AR I 3R 7R TN ATUAH DG R R OR |, JF 29 P AR AiE 3
ZR ML 7 DA D3 AR AE R HROR B AU . B, Tong 457 ik — AN TE T ) B HORE SR UA
TIE 2% 73 il A A 10 1 A A DGR IE 3R 7R U 2 R AR DGR 3ROR |, O die /MK AN AR IR 20 19 A 5X AR AL
Qin 250 T N I 2 7% FIAR W A DGR AE 28R DEAT SR Ak AR, 33 ok o 0 D 45 % R 0 3 A 1 R
T B AF % A L 5 Nan 2509738 b 3o B0 DI 4540 500 2 > U375 K G AR 2 /5 1 Rl oA O S0 i 267, I 2 3R 5
PR 1E 3 7% (19 B2 JR 80 M1 5% (Pearson s correlation) 28 80K 25 B 1% A RRAE 22/ v (9 1 A 45 L ; Mun %
T o e /N 6T N AR 3R 7R I UEURRIE 2 78 19 B AR R R 249 SR P A R A 26 75 AR B ST, G v @R G B 94
246 30 3o 45 43 ARG R 2 20 s LS AR R R AR R AR SR A 2 B R R T — R T I
KSR KA e /N Ak 0 R AE A R O v L A% 1% TG e WA R TR 5 N AE AN (] U 8 Y AR A PR O T L S
JHME
2.2.4 ¥

DL E 435 287 5 T8 5 G 0 AN 78 30 2% > RIURRAE fife Rl 09 S5 80z Ak Dy i, v B T 0 4 0
B 7 1% T e DR MR P A (] AL, T LAt 7 b 1 R DL T A R M 7 A 2 A ) Al 5 80z Ak TR R
W2 3 PR 3K 3P 7 vk 4 A R S, 78 5 B A 381 W 75 65 4 ) R, A ) B o 4 0 O kR D Ah T
5, LA ) A I s AR 50 37 N AR IR 3R 25 AR A e i T MR R R L A Ak THH Al S Ak 1) R AT AR
78 5 s 50 2 v Y 2% B R 3k R BN A 3R 7 A o) BURRAE R O 7 -
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Table 3 Comparison of deep learning-based speaker domain generalization methods

Iy S J5 T e
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