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A Light-Weight Full-Band Speech Enhancement Model

HU Qinwen, HOU Zhongshu, LE Xiaohuai, LU Jing
(Key Laboratory of Modern Acoustics, Institute of Acoustics, Nanjing University, Nanjing 210093, China)

Abstract: Deep neural network based full-band speech enhancement systems face challenges of high
demand of computational resources and imbalanced frequency distribution. In this paper, a light-weight full-
band model is proposed based on dual path convolutional recurrent network with two dedicated strategies,
1. e., a learnable spectral compression mapping for more effective high-band spectral information
compression, and the utilization of the multi-head attention mechanism for more effective modeling of the
global spectral pattern. Experiments validate the efficacy of the proposed strategies and show that the
proposed model achieves competitive performance with only 0.89 X 10° parameters.

Key words: full-band speech enhancement; deep learning; multi-head attention mechanism
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eI £ 104, B IR E M4 M 2% (Deep neural networks, DNN) (1) 50 3K 2h 1 2 B4 58 7 L U T
BRI R, 515 58 045 5 A0 B0 7 AR B L33 28 ok 16 M 7 40 R GE5 4 BR LR AT A R . K
2200 T WO R G T T AL B TE A CRAE R 16 kHz) 878 4 CRAE R 8 kHz) 15 1 , 11 42 3 BE CR AR
48 kHz) i & W 38 7 A A TR AR AR, LA 77 2 v DR B0 5 0000 37 5t o BH N 0 Ak B 4% ) A3 4
2R 2 40 98 LA T 4 0 B 1 1 SR R AN T IR ORE S B A R R TR SR P A S 3, A5 K E
P T R A R B R S BB A . A, DAGE — i 7 XA BT A A O R R O U =L R R
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TE Y R 4 il A AN A A B 24 B TR e P IR B L R T R 2 — g P A 4% O T 4 A IR
A B R 2 7 5 4 I 46 A5 50 32 ) T 901 S A0S 20 9 5% o I Ah (00 PRI S0 AS T 8 B A A 9 7 I 46 T LA
LT TR AL B, DL 2 B e 1 G e M BE L E e AL FRAIL ] b AR X /IS R RS

AR S KL T S I WU A% 5 ARG BRI 48 455580 ( Dual path convolutional recurrent network, DPCRN)'™,
PR T — R B P S TR 4 B . DPCRN J& — N HE % A 58 4 1 0 52 8 G0 2 B o B iy |
TE 45 3 Jii 1 3 M 75 410 1 Bk S #E (Deep Noise Suppression-3, DNS-3) " i HE 44 45 3437, Ho1ij 75 45 1Y 1 %0 H.
A S RN E KA 3B G DPCRN 75 2 0.8 X 10° B8 Ml 3.7 X 107 3 hin % (Multiply-accumulate
operation, MAC) , 2 1 44 f T 35 B 6.4 X 10° Z 501 6.0X 10" MAC, 55 2 &4 BB 5 52 5.2 10° 2 5
52.5X 10" MAC. DPCRN AL 73 53l 75 1 4 5 A2 1, B0 Ak FHOBUISR 15 G 60 e oA 420 D Ak P Jal 5 6 4 e )
AT B ARG IR 4 M 4% (Recurrent neural network , RNN)#EA7 @A b 1 8 G- 3 F1) A9 % 22 18] 19
PWFERE R A SCBER A 5| AT 3E T ML, B £ 3k 1 7 J1 (Multi-head attention, MHA) 4B H T
He N Ab B RNN, 17 A8 e (] b 3 1 AR SRR B8 RNIN G A T B A5 00l Ak B 4 A3 7 30 174 86 400 | AR Sk
Bt — A4 AT 2 2T B B3 TR 45 it 8t (Spectral compression mapping , SCM ) K H: sz v 28 48 43 51 % Jin 31 ) 2% 11 ik
FHA 5 Ak B, ] DA 80 4 R SRR 8 KIS o R R B i 44 S A e 44 I S R B A T D 40 B I
4% (Spectral compression mapping-dual path attention recurrent network, SCM-DPARN) . 7 H A 0.89 X
10°Z 80 4 7, SCM-DPARN A5 51 AT L3545 5 At w55 M R 42 400t 450180 288 0L 15 57 38 5 AR &

1 SCM-DPARN &%l

1.1 @R FEE G
B 4% ( Time-frequency , T-F ) 38 7 M 15 & 7T DL b Ry
X(t,f)=S(t,f)+N(f) (1)
2 N I W B AR R TS B S (4, f ) N (2, f ) 53 500 36 7 % I B3 (%) &0 v 3 o AN IR 75 1y, HL
S(e,f )72l BEAT A IR Y55 o T SCTEFR AR A Ja 1% [ I W« /17 3K
7R SC A Ak BRI BRAS % R S IR, DR LA AR () [ R XA R R R S BEAT AN I A S. Bk
1 7 2 0 N B MR R O X RS ML F S
e, AR TR] A b R AT S AL T L AL A I 2R
e /METE SIS b5 31 2 R B L RS2, R

S=F(X) (2)
L=Loss(S,s) (3)
S F O T A0 1 I 4 bR Bk il R
W SR 04 5 v B A T bR A 0 S RN
HAF b AE T B i AT 5 28 o A U I, T
AT LA S Ji s o 5 1 8 0 v A0 B A T iﬁ' .
N R | [ B ) &b ww
55 DPCRN' % i, 4 S B 14 4 8 i

i LA BU A A BB R 2 A figk A% 45 2 A, n BT A SR 9 SCM-DPA RN A 0 8 45 4 1]

B 1R 78 o G fith 4 % 45 7E 1.2 795 4 34 A 4003 1 Fig.1 Network architecture of the proposed SCM-DPARN
AW R Z )R BT 2 g R AR model

e
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s & 2 A0 e G FUZ L5 40 0 3% 5 — > 30 0% S 48 B 5 (inverse Spectral compression map-
ping,iISCM) 22, FH LA A 500 3% 114 S 30 ol b 0 o 4 2 0 0 0 A ) 20 v 1 R 7 J2 22 Il P A 22 i 4 . i
it g B9 25 48 7 R LA P 2 B

i
[ st | [ w2 | [ #m3 | [ sma | [ #ubs |
) )

( PReILu ( PR::Lu ) ( PReLu ) (" PRelLu ) (__PReLu )
Hehr Al Htpr L ikbrrEtL HebrEft HtbruElL
—HBR16 ZHB(32 ZHBH4R) S EEF(64) (SEEFHRO)
;fJ_L :*_J_)J ﬁ ) T T

LN
FAR=(F,T,2)

(a) Structure of the encoder

[ [
(_PRelu ) ( PReLu ) (_PReLu ) ( PReLu ) ( PReLu )

ftpr Al HebrEft feprdill | iRl Htpn it

CHEEF(64) | (THEEBFAE)) CHEBF(32) (4B (16)) (ZEBFRQ)
s |—pre—t - . i Lz i

Dty [ e | | w3z | | mm2 | [ w1 ]

(b) Structure of the decoder
B2 G B i 285 4 R A B 2% 245 4 s IR

Fig.2 Structures of the encoder and the decoder

1.2 5% 45 R 5

TE AU U 0 IR AT 55 b A SR DR B 1 23 B AN AL o ST ) 4 BT R i A A AR R AR
THE 2 0 5 B 0Ok 19 34 Rl B zﬂ%Eﬁj\z:E‘Jﬁ%ﬁ‘{ﬁ%@ﬂé{a‘%mgﬁw‘EI‘J o B (8~
24 kHz) , DT 25 39 It 5 S 40 R 27 o IRME o PRI, A b 2 5 | A £ 5L 1t S35 58 W R A7 R0 4 1wy A
Bro SCM JZ At BEAE M /R ROBE B o 2 A9 AU 3 o A 2K R 10 2 48 3 ok o) 50 R 8008 451 30 e 48 oy
HEOR R0 Sy T — A B G R 1 P R B (5 B RO S8 O B AIR T 5 kHz U B AR B, RO T
5 kHz 15 Bt LI EOE B AT P Af e o e ith £ € SCh

q(m) 0kHz<<¢(m )< 5kHz

(m)= — 2500 (4)
g 2500[1n(%)+2] 5kHz < g(m )< 24 kiz

P om ABERS] 5 q(m) AR IESE H S m A R BRI 5 g (m ) Rz 0 o 6 78 45 sl 6 107 7 4%
B o A — > F 2435 5 40 0 F 28 5008, 78 A2 e kb SR R AE F AN ) 4 i 1 R g (k) (k=
1,2, -, F)o 1A B S50 S5 R0 280 R 94 72 4 aod 2 1] LA 3 Ry

Loy = Ween 2€R", z,, ER™ (5)

WSCM_[IKXK Z(X(FK):|€RF“XF (6)

T —
G:[gK+1»gK+2’"'vgk»"'vgn] GR(F“ Kyer (7)
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0 g(m)<<q(qlk—1))

qlm)—qlg(k—1))
k—1))< < q(q.(k
B = qai—1) (el I=alm=qlald)

glm)= (8)

q(qk+1))—q(m)
(k) <g(m)<qlqll+1
q(q b+ 1))—q(qLk)) ¢(q(#))=<q(m)<q(q ))

0 q(m)=>q(q(k+1))
K IR IR ; 200, AR 0I5 B H003E 5 K % 0 T 5 kHz A 905 5 B R 515 g0 B 5B kA = IR I

q. (k)

w5 q(q (k) R (4) v X ek By i e 563, B g (g (£) )—25oo(e25002+ 1);m— 1,2, -, F; P=K-+

LK+ 2, F..
X AR AR AR B R BRI . 2 (4) B 0T 5 S5 RE 08 0T G B M A A W] BE 43 e B R L H B R
FIE AT R0 T 125 A9 ] PN o 5 S AR R 0 A o DR , BH R P 3k e e 4 A5 OR300 AR 43 AN e 1S B
AR B TE v B AT R M AR B
ST A R 3 O A B PR R 4 A A5 R e e P — S 43 AT 2 ST B PR A W e R
SR R A e B, 9F ELR R AR A B W son RIEATRI B4k . HErP B B3 Wi, =[1 0]€ RN 2
[ 52 0, F A I 2 Was € RS T I M AT 3T IE B R (7) i G R BEATRIAG AL . AR I M, 3
Ui R 45 W 1S CM A3 5o 7T 2 > 3 W g € RSB, B Wigen R FIBEHLAD HR 1K -
1.3 WEEREENEIRKE
JE 4R i) DPCRN 7E AN A 9 4% AT T RNN, BBy RNNRITEe ] RNN .5 L < He " 5 4R
WL A . B RNINCVE T 003580, T X8 S0t v 4 080 236 22 ) B9 R DG Mk 1 AT A 5 B fia] RNINAE T T i
B, FH T8 B R AR DG R AT AR . 2 R A A M o LA D I RE O R B MHA B e ey
RNN, K2 & 7] DL A R4 A 00K 7 91 0 22 Jmy s B = 5 — e, I ) - A9 4 JR A 8% 771 & 4
58 R VR AN S 06T 1, LG OR B T B ] RNIN
345 i1 T DPARN Kb BB (1) 1 40 245 44 LA & MHA [ BARZE K . 16 SCM R Z )5 , S i 28 ik — 45 it
AR HEAT H i, O ELTE 2% It b 3 4R B2 O C 1Y R ARk 1) 12 0 FE BN MHA B9 A E VS = A 7 &
4 fith (Positional encoding, PE)"™ . 7EH N MHA v, sk 7 1] b 647 3647 40 BE, 1 2 0 2 05 A 0 R 51 K
BE R FIi C 4k i, o F'3ROR SCM R A& B4 5 4% R 4 Ja il R 4t i, FI<<F <<F. £ ifj I &
QERC ik KER R & VER" RGBS E 5 AR . WS L B H AT
ITATER I SRR, MRS T, Q KM Vg &t 8 d o d, (dy=d ) B d 4EFE T J)
Q=QWZ K,=KW/, V,=VW) WReR""“ WrfeR*“ W eR* (9)
Kb h HEBE IR ERS . ZEES ) SOREE RN T QK 1V, /i
QK
Jd,
3 (10) THIRRF 24N 4805 G E A3 2 0] H g AR RUI: | I 4 7 1tk {1 ) 2t 9 352 V), 43 AR, P IASCR
FE Ry A1 7 07 SR X g R b o AN TR B 0 Sk i s i B R T R MR B Il — R 41 C 4 ) 1, 1))
MHA (Q, K, V)= Concat(head,, head,, ---, head,, ) W°
head, = Attention(Q,, K,, V,) W?€R" "¢ (11)
TE MHA JZZ 5, JH— > 1 15t 00 26 3 — 20 A B3 A A0 i A5 5 00 158 090 45 4 435 2 4> 42 % 4 2 AN

Vi (10)

Attention(Q,, K,, V,) = softmax(
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(a) Structure of DPARN module (b) Structure of MHA module
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Fig.3 Structures of DPARN module and MHA module
LA ReL U i s 502 B

FEN(z)=max(0,zW, +b,)W,+ b, (12)
A2 MR G A W, e ROV W, eRUTY b ERY b, ERY
14~ MHA JZ R 1A Fr st 28 908 141 MHA f3t, BANEE B MHA B2 5 144 3% 422 Al
1A~ 3245 4 18 AL JZ (Instance normalization, IN) o i#F— 256 4 H ik dw 77 B 2 5 8 A B[] RNN A, 78 Bk ]
RNN o i FH K 55 19212 M %% (Long-short term memory, LSTM) AL BRI F % 21 SRR A 114
BB 1A INJZE . 21 META BEHE P LI A TR 53 5 e A8 43 22 i I 9% 2 e
1.4 JIZ%B#F
W 25 1) 27 2] H bR 2 A T R Y SRR R T S = S, T 1Simegs JE T Sa RN TEER L Si TR MR
o Ao 3y 2R A 0 R B S I A, T L G Ak AR I SR A R 4 L A RO R A
B F AT g S == | S SURR R4 AT LU IR Oy S = S| Hrfty S FRAE R B, LR C 3R R
£y s WS s S M1 | A | B
Sta=1S|"coss, S§..=|S| sinds (13)
IR0 24 £ 1 45 ) B9 20 0 3 5 9 Sy 1 S, SR A IR B9 5 Lo T 400 52 52 00 T I 35 £ 408 2K v
Lia(S.S)M Ly (S, S ) 435

1‘R1<§9 S) - H Stea — Sﬁal

(14)

] S — S ||
F {mag mag g
LMag(is):HwV—\é\y (15)

2
;
S [ 4 5 9 19 Frobenius 050, 1 27 T 311 25 SCM-DPARN §3 % B8CH Lio( S, ) Al Ly (S, S) 2

A, RIKAH
L=Lu(S.5)4 Ly(S.5) (16)



WinE F.—HBEITELMTETHERNEAL 279

2 HEXBSERSH

2.1 HRXI
2.1.1 #H#EE

AT IR SE R LAIEAS SCM 2 B9/ T LA & DPARN 5 At XUBR AR A5 RUAH LE B9 A3 . B A5 i 75
PFE— A /NEUHE B B AT NS5, b A ok 1 T e S VO TR R I8 B 4 STWIS!™ iy afi i 15
L LLECK  DEMAND A QUT-NOISE ™ Ay M 7 e dis . BT A 35 AK LA 48 kHz Kb . v i 3 S i
29 KN B AL 0 45 ho 5 35 AR BE L2 10 s KA R B, Sk A 16 000 A 4l g iE i A B, o
14 5004~ Be 0 T U4, A T U603E . 1 268 1090 B9 24 48 55 M openSTLR26 Fil openSLR28M ft
Bifi AL 28 BB B 1] Jhk b o7 i 4T 8 AL, SR S L —5~10 dB (a1 % 1 dB) A% {5 M HE (Signal-tonoise ratio,
SNR) ¥ 75 7 Be 5 M 75 BEBEAILIR &, DT A et MR 7 R B o 0 T A R ) (9l M o 5 A 280 g 1|
Y5 H bR Sl TR I B v 1 BRI A SR S 38 A LA S BRI R 7S O HAR AN 5 S TR I

Xt T 00 A e 4 K 1 DAPS! R Sl E 5 A [ Saki ARG IR R L0 B A B0 AR R
AN ZEAREAR R . A SNR 405028 { —5dB, 0dB, 5dB, 10dB}.
2.1.2 A¥%EE

%7 B B A8 3 (Short-time Fourier transform ,STFT) B % H K E A 25 ms, Wi A 12.5 ms, &l
A B AR 4 B Ry 1 2004 s, RV A T 465 1) A A R AIE I 4E 32 601, S04 T STEFT I T 5

1ESCM 2 ,F, =256, K=125, it & 5 " HERF)Z. Wil @B {16, 32, 48, 64,
80t , BRI K/NRI(5,2),(3,2),(3,2),(3,2), (2, D, K HK{(2,1),(1,1),(1,1),(1,1),(1,D 1},
Forp S8 T B e AO0R B R BC 8 L 58 2 A BCE R AU il RS . R AR T i B B T2 R R
mHEF B . B E)BRZE S N 1A bR #E 4L 2 (Batch normalization, BN) fil 1 4~ PReLU RR#UZ .
B 26 3% 38 1 0 B 4R L BEAT PREOR S, FEARSZE T, DPARN A BV Hy 14> py Ak BB He A 1
AP ] gb B B AL B . fEBRPI MHA B, B=2, H=38, d,=d,=d,= C/H, ¥ C = 80; 7 B[]
RNN m  LSTM i B )22 K/ hy 127

K F WA 253 A Il 2 SCM-DPARN . 1 B 326 3 5 2 2 SR — DR /N T 46, S BT
R, B REAE B 1k P9 45 A T AE — JF 16 D 8l R K, (il LR B — A B 35 LSO 1) o 2 20 R a BEIINZR DK ¢ T

2= X min|
I RN

2
ARBH R, =09, 8,=0.98, e= 10*%@@;;;&5(7:?

2.1.3 AZAEREFoF N 4547

BB A0 4E DPCRN 5 44V 4 SCM 2 DPCRN(SCM-DPCRN) ffi By RNN 55 i) MHA
BRI (SCM-DPRAN) i FH 5 g MHA Fldk ] MHA f94£ 5 (SCM-DPAAN) . J& SCM 2/ DPCRN #
U 56 8 (1 601 AEATR AR AR HEA TN SR, AN BEA TG IR 45 . B i) MHA ' MHA B8R B= 2. 1744
bR 451835 R 0 PEAS (Perceptual evaluation of speech quality, PESQ) S I % WL I 14 J& (Short-time ob-
jective intelligibility, STOT) AR AAE(F 5 2 H H (Scale-invariant signal-to-distortion ratios,SI-SDR) .
2.1.4 FHLERBEHH

T S 6 rp 45 AR 7R R )4 e L 4R LAY PESQ.STOIL.SI-SDR 435043 5 i & 1~3 s . Hir
PESQ.STOI/r BUE ¥4 15 5 2 #B M 48 kHz R HE &R AE 2 16 kHz J5 A3 . SI-SDR 43 BUR 78 5 7 1Y
48 kHz RHEFRAE S LIFEAR BN . A DN IRIR R E A AT AR A7 45035 1 45 /) DPCRN BB 4 g Loty 47

LRGSR w40 000, SEH A Adam (AL AR R 4722~
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SCM JZ B9 DPCRN 5 B GEAH X SE 855 o Fh g AT UL, % T A 0507 3 5 18 S A Y, (455 56 B B 00 A5 B
AR R Z R0, 0 H 2 B A AL e RE . 7EX R IR T BB S I T R AR Y TS BRI T
T AR A 0 A A A e AR o BRI 3 A R A R AT AR A R SR R 1S R X R 0 Y A
A SCHE Y SCM-DPARN TE 4 8 b5 4515 W8 LU ECH 1 PR AR Dy de £, JF EL O 37 AR 45 M 1L T 5 m
o #5E T SCM AL, SCM-DPARN fE % A7 &4l 412 IO IR 0 18 0 15 8L 5 T Ik il T 223k | R T M %%
(4 Jm {5 B A B H B O A B E A R 20 BE OK B B AE A R B O . SCM-DPRAN FI
SCM-DPAAN P A B8 A5 ¥k 8 F [, 4 %245 F SCM-DPCRN. 3 B % /0 X 1 45 1k 9 190 46 1M 75, 78
MHA \RNNJZ EU8 A B LT AL 5l 22 Sk T8 T AL 0 S 2 B R B 4%
F1 ATREMERRLLMILE LB PESQ TS
Table 1 PESQ scores on test datasets with different SNRs

" SNR/dB
L -5 0 5 10
Jis g 1.15 1.23 1.37 1.64
DPCRN 1.45 1.94 2.07 2.36
SCM-DPCRN 1.69 2.33 2.53 2.99
SCM-DPAAN 1.47 1.84 2.15 2.58
SCM-DPRAN 1.54 2.04 2.32 2.78
SCM-DPARN 1.84 2.42 2.61 3.03
F2 FREMERELE K E LK STOIES:
Table 2 STOI scores on test datasets with different SNRs %
e SNR/dB
B -5 0 5 10
Dy M 77.6 86.3 91.1 95.5
DPCRN 76.8 89.0 90.7 91.6
SCM-DPCRN 83.2 91.8 94.2 96.9
SCM-DPAAN 82.0 89.6 92.5 95.6
SCM-DPRAN 81.1 90.5 93.5 96.5
SCM-DPARN 85.3 92.9 94.7 97.0
&3 ATEMERRLLIIK & £ SI-SDRF 5
Table 3 SI-SDR scores on test datasets with different SNRs
" SNR/dB
L2 -5 0 5 10
Dy Mg —4.99 —0.01 5.00 10.00
DPCRN 3.68 8.64 9.79 11.65
SCM-DPCRN 6.05 10.66 12.20 15.06
SCM-DPAAN 4.57 9.08 10.92 13.79
SCM-DPRAN 4.30 9.25 11.53 14.14
SCM-DPARN 7.07 11.51 12.82 15.41

2.2 IEIEICIE
2.2.1 BEEFLKEE

AT H SCM-DPARN 5 31 45 1) At 42 457 68 58+ CRAFE 2 32 kHz) 15 & 3 58 10 SCRE R iE 1T L A,
TEAFF I VO TK-DEMAND $8 4210 b 3 — 5 I 25 R S 412 11 A8 80 L 320800 4 A 4R Al 4l v i 3
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M R B DR O M R RO . A R B VO TK U0 48 L 3L b 28 A U S Y EUHE T I
Gk, 2 U AN B9 e T I MRS B A T IR B 2 Rl N T AR A MR R 2 B (3 R IR R R
WE ) Ak [ DEMAND 'y 8 fft BLIZMR R, DL K 05 A0 Hoft 5 e 75 . 259 SNR LIk 10 dB,
5dB,10dB,15dB}, Mk i) SNR 2454 {2.5dB,7.5dB,12.5dB,17.5dB . Il Zx e B3 K25 10 he
STFT AL & | M 2% 2 i & Al 2 5K w55 3 Filh <2 56 A0 ], BB KO 5000,
2.2.2 RZBARFeiR N I8 AR

BE 28 B 40 45 . RNNoise™™ | PerceptNet'™  DeepFilterNet ' il SSDCCRN™! - 3 28 55 1 1% 43 5 4k W
TSR, e Bl AT SSDCCRN P E VCTK-DEMAND Yl 258 1 Il 41 f0 , HL7E
FRLS T B7 P 7 8 el 57 48 5, 0 7 ) Ak L R AR 7 A MR o 5 4 0
2.2.3 SHBEERBEHH

FEA TR VCTK-DEMAND M4 F 925 % 4 Fion . B4k RNNoise ™ A7 0.06 X 10° (19 S 4L,
HELETERE A AL B RAT R B o TRV ZR B 4R B/ RIS 0T, AR SCH Y SCM-DPARN 45 4
7E PESQ . STOI,SI-SDR =48 #5 L #8 IR 1 fie 4 19 43 50, BRI RN U 0.89 X 10° S 8. Z5 R &R
B, F ] SCMOX A 030 £ R EAT IR 4 8 22 3k 1A 3 38 00 0 00 33 25 ) kA7 A ASEXT T A I AT 1 8 Y i A
T S AT A A SR

#*4 VCTK-DEMAND ##E & F &&E B 6L LE &
Table 4 Performance comparison of different models on VCTK-DEMAND dataset

iy SR /10° KA /kHz PESQ STOI/% SI-SDR

Do Wi — 48 1.97 92.1 8.41

RNNoise”’ 0.06 48 2.29 — —

PerceptNet™ 8.00 48 2.73 — —
DeepFilterNet™ 1.80 48 2.81 — 16.63

S-DCCRN" 2.34 32 2.84 94.0 —
SCM-DPARN 0.89 48 2.92 94.2 18.28

3 H£RiF

A SR T — Bl A A 1 SR AR R SCM-DPARN ., 2% 48 58 1 AT 2 > B4 4503 1T 4 e
S Sk B A A b 5 A5 R A 1) v B AT L FH 22 Sk T R 0 I 4 BBUAR A A el 448 ) 4% XoF 4 A BE AT (1) 4
Je G AR R AT AR L AR S a7 Al ST I B0 E T 1 R 46 9 A b OF i — 25 A T DPARN AHER T H Al
XU AR 1 B s AR (A 3, #E VCTK-DEMAND 3036 4 b A9 5256 /R, 5 JLAh 4 40 15 5 155 o 455 80
A HE A SCHR B9 SCM-DPARN AY i Fi 0.89 X 10° B 8wl 52 B0 1 488 4 F4 18 355 18 5 4800

S E 3k
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