ISSN 1004-9037,CODEN SCYCE4 http://sjcj. nuaa. edu. cn
Journal of Data Acquisition and Processing Vol. 32,No. 2,Mar. 2017, pp. 221—231 E-mail: sjcj@nuaa. edu. cn
DOI:10. 16337/;. 1004-9037. 2017. 02. 002 Tel/Fax:+86-025-84892742
© 2017 by Journal of Data Acquisition and Processing

ETREZFIMNEFIRIFARAMARSRE

AR KER ZHH

CHEBHERAREE T S FSARER LRLE %, /IE.230027)

B OE: ANRESITNAREN XABRMARAITHE
FEMNGFRRAE, X5 AEET L5 RAT S St
PR MK TRAES T 6y FFERI G FMmA, &
FEFIAHmBmETRAN., RERXREATREFINEFTEANRARTROTZ T QRFTRA,
KEW: REFITREMNEZRNL;EFRA;HIEADER

hESES. TN9I2. 3 X REG:A

MANB, REWMREILFATRES T HE
TG FFEERINGEN A TREFIWF

Deep Learning for Speech Recognition: Review of
State-of-the-Arts Technologies and Prospects

Dai Lirong, Zhang Shiliang, Huang Zhiying

(National Engineering Laboratory of Speech and Language Information Processing, University of

Science and Technology of China, Hefei, 230027, China)

Abstract: In this paper, deep learning is briefly introduced. Then, a review of the research progress of
deep learning based speech recognition is presented from the following five points: Training criterions for
deep learning based acoustic models, different model architectures for deep learning based speech recogni-
tion acoustic modeling, scalable and distributed optimization methods for deep learning based acoustic
model training, speaker adaptation for deep learning based acoustic model, and deep leaning based end-to-
end speech recognition. At the end of this paper, the future possible research points of deep learning
based speech recognition are also proposed.
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HEES - MIEFRNEILE S, HERAERA SR - ERE SR, Ff, A
PR 2 — Bl 22 )2 8 R JZ AL PRES A L X 18 35 15 5 B0 Ak IR — Fi 2 Ak i b BT . R Z B BT I
55 AL H B vh 2 HEA 52 BR MR R AR e — G R B BRI R IR & 5 B S AL S OGS /2 . v it
AL TR R R R L W R R S S TR AR S AL B IR ) R A s TR 2R (5 AL BT Y
WFFEN LI R TE » AATIF I X HRIF T B B WF 5 . 72 J5 ok i JULAR HL L 283 WF 50 N 53 B9 AN 18 55 g, A
TR Z S Wbk A JRE . 2009 AR VR BE 2 2 1 YN T B0 05 B R0 450 AR L T A% G Y i 30T TR A B -
[ o /R BE R AR A (Gaussian mixture model-hidden Markov model, GMM-HMM) & % {1 R G 3815 T #
i 20 % AT P RE IR T . S . 3 T IR P 22 R 4% (Deep neural networks, DNN) fif) 75 27 B R % 7 254X
T GMM B Ay i YU 7 2 R A F2 I A B SR AR R A T 3 & U BRI K i L R T S LB
F 5 5T 0 1 5 TRUN P BB SR A A A T U BORE 1) FCIE S AR . AR SO SE 0 TR 2 o i — A
fR] EEME AR AR5 B ROt TR 2 2 ) I U R BUR AT B TR A0 T8 i 5 i TR B 2 T 1Y
T R OR Ok AT RE MBI ST U 1] AT R

1 REZFIEN

VR B 2 X I ME ok U5 T A 2 N 4% (Artificial neural network, ANN) ., A T £ /N 4% 2 ML #§ 2%
25N Re U — R AL e DA A B A B Xk N IR 1 b T I 4 HE AT Bl 4 L DTG i 3 A5
PUNA A 2 2 BE T H A o 55 1A NS 22 o0 i B {H 22 4 5250 (Threshold logic unit, TLU) . &
B McCulloch FI Pitts 76 1943 48 80, B I, FFA 7 A T f & W K iF 98 b4 . 1958 4F, Rosenblatt ##
H TR SRS R R TR R e P (L R B — A R R S N M A A M 4 1 R
JES R HA I IER X . 73 5h . Rosenblatt i @ i B A 2827 > 1y i B2 . 78 Hebb 27 o 15 U #4 Btk |-
P 7 — MR A R B S B —— BN S Rk . BUNAR R 1 DR M M AR X
P R0 45 — PR 4 R A R A e Y T 2K S5 A, B AR R AT ] R EL A 43 R RE T X TR AN AT 43 [
R BERE Bl 325 . £ )2 B 4% (Multilayer perceptron, MLP) fif ke 1 B J22 81 25 7Y Jay BIR 1 [ 80, ) 1
25 A R BRI 5 e T G, I LR T A T BRSO o 2 1 R R S S AR A i K. i T MILP 2
— PP 22 A AR kA AR A 9 R A SRR AR RE ) o W), MILP AT LUJE 2o 45 22 5 1] 1% 5 55 12
(Back propagation, BP)" #4711 %5, {HH F MLP % J2 8005 oR 203 o A 2 1 oh 850, B8 R I 25 rh i1 451
K RBUE BRI SR AR I R A R JF B BEE 2 B0 3 £ JE T AR oR BOBOR B R 2% L SR B R /ME
JRAR MR AR ME HE AT U0 AL 6 ] BP 78 47 55 1 R AT 0 45 1 5 i AR e AR 7 2 Jm e 0 Ak o TR G L I s R 30
DA A 1 1] 8 35 7 MILP i A 38 50 K ) ¢ 38 L AL g

VR B 5 W 4% (Deep belief networks, DBN)'™ J& Hinton 48 2% 3% 7F 2006 4F 32 1 19 — Fh JC Wi B 1) A
FA AL ] DBN R4 4 1k MILP 4 J2 19 10 25 2 KU RE 06 A e HL H A ok 0OME LD A A 1R L, — PR fi
F DBN k44646 iy MLP iy DNN. DNN #5283 25 By Be R B0 o 5 A 22 38 - (1) Bl 25 (Pre-train-
ing) , ) FH JC W B 2F 2] 09 28032 1| 45 57 BR 3% /K 2% 2 1. (Restricted Boltzmann machine, RBM) , RBM i i
B JZ VI 5 HE Z i DBN; (2) KRS 41 98 %% (Fine-tuning) . 7£ DBN [ & J5 — JZ [ 18 3 Jil — )2 Softmax
J2 B TR0 46 b DNIN AR RS 28, SR J5 {80 7 b T 09 20308, ) 4% 2 b 22 0 2% 19 27 ) 353 (n BP
K] DNN R 28, e RARZ 20 (ERZRN . —~RIRZERRT 2 hE)la BT
1 R RS 2 880 (— P S OB T 7 A A0 s A 1) 19 2 = sl 2 ) AR DI 25 80080 78 43 1 4 1 F —
FEEE BAS 3] 1 D A5 98 DR Y 2% ) FI R IR RE S TEALA% 7 >0 R A5 DU 5 0 3 5 oL a2 ~J S0
TR A 2] B G TR A T MLP (& R i T8 J2 i 22 1) 45 45 R A R B s
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B DNN 32 22838 1 i 2 & B )2 i 4 M 4% (Feedforward fully-connected deep neural net-
works, FNN) . I )5 Bl & R 2 3 1) & & B R 22 W 2% (Convolutional neural networks, CNN) 13 5
P22 M 2% (Recurrent neural networks, RNN) 4§ R 2% 25 #4975 B 25 7 2] A A 4T 55 o 45 2 L OF HoAR b T
DNN Je 8Lt % A 90, 32 3 BOR B 2 /9 6 1

2 ETREFIMEFIRANER

2.1 BETREZFINEFREIZED

AT LAEE T DNN-HMM B 35 U0 P 2 5 BUME 20358 18 5 T IR 8 2 > 1 7 22 A B3I 2k i DU e
ZRanpE 1 RN . AH H T S R T GMM-HMM 14 35 & U AE 22, 0 Je K 207 /2 % Il DNIN 85 #
GMM H871k Xof 1 & i WL ZE A A R AT a8 . DNN A EE T GMM B4 #5478 T« (1D & 1] DNN £ i HMM
RS A I B8 M 3 3 A AN T 00 1 B o3 A AT BB (2) DN B A KRR AE AT LR 22 FhRFAE 1 B 45 - £
5 Y Ml A 1 21 5 (3) DNN ] LUA FHAH 4B 38 & Wi B 63 i &5 M 5 B .

B FE UL AR i 2 I 2 o B AT AR FNING X T
AL LA BRIZ R FNN, H s AR BT LR

=X (D
h=fW'R" 40" 1<I<L (2) Vi
y =Softmax(w"" A" 4+ 6*"") (3) 1
3 X FR A R SRR 5 (W01 SRR ) i AN
{1 E B TR I k5 ) 6775 B2 1 Ik 4 A WS R B it

it 2 R Softmax pR %05 2 45 4> g 8L T B9 5 6 HE R

et . LI 0 Bt A XY LB O B R 0 7
0 1 65 86 30 47 B 66 A, % LA  Cross-entropy Ah

3
fre -

CE) MW 2% M R (6 16 B AR BB, CE Rt FARgy 8 & s iasiiiass
HE AR 23 A 60 52 B i b MR 3R 2 A 2 18] e R AR AR L HC L 1 3F DNN-HMM {5 &% 05 & %
/IR DL 7 M TR e R BE A E . 26T CE Fig. 1 Tllustration of hybrid DNN-HMM
WEN B4k B bR sl 0l based speech recognition system

LIPNE

Four (W) =— 3 Slogy, (5, )

r=1 =1

ey, (D FIRAE ¢ 2155 r A)IETEARAS s T AT Softmax J2 M4t s, Fm X, X AR T

CE J2& & SCAEMUZ 0 b i Pe AL by T35 35 15 5 — D P45 5, B LAUSE 5 3 A9 010 7 v D vz 3%
S8 XAEEEA T A E AR AL HE W] . SCERLO ] b X bb 7 AN [ /) - 9 % DX 0 P o 0 A 4 B R BLM5 B &
(Maximum mutual information, MMD | iz /D3 2 4512 2 (Minimum phone error, MPE) IR &% /NN
i 1 XU (State-level minimum Bayes risk, sMBR) F13# 5 % &% K H {5 B & (Boosted MMI,BMMD) , 3k
YI1ZE DNN-HMM 5 2= 5870 25 BB R [6] ) 9 DX 43 o U] mT DL AR A5 AH O /9 PE g IR B 48 1 T CE
YU AT DR AS KA 10 20 19 FE X PR BB T o /A 4 DX 3 ol U3 3 5 | /) 7 SR O | R 2 A A 1) LR
T BT I 24 SRR A R 6 2 S 400 X B 2 R D) A I TR A AR A AR B AR R AE Al s TB) . BEX T
I, SCHRCTO 4R 7 — Rl 5 WA% JC 6 9 MM o JU) F T DNN 9 4 2% X230 P 4% .
2.2 ETREFINETRANFEEUMNEHRER

2009 45, DNN & 8 A 2058 3 303 o R RGBSR Gl 1 BT 19 DNN-HMM., Y4 i 1 52
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B e AE 3 h ity TIMIT il i b b 47 195 200 S 06 . W0 4% 19 g A PR 3 it ) 3 3 75 2 5 AE L A1) il DNN
PEAT R AE B2 ORI AZ 8 000 F AR U 61 A5 A XA 183 > HMMURZAS . SCB B0 IE 1 i i Pre-training
AR AT LAY GR35 24 B2 i 1 22 R0 45 T L B U2 880 9 38 0 8OR d /e 3 7 o i A2 SCRR 1L+
il FH 20 5 1 35 2R SR N EEBE BT, 75 56 T DNN Y 35 35 PR 8 YR 7R K i) 0 B 3 4238 3 IR T % |
EEF

FE 1) DNN-HMM 752z 5 51, DNN Gl R T2 T sigmoid B9 AR 2k 90T o6 2K, 1 53 fy — £
IS IR T — b S S A R Al A S R R B 2 4B IE A 2R BT (Rectified linear units, Re-
LUs) . X PR s ok B 2 sUn] 08

X

e
Rel.Us: f(x) = max(x,0) (6)
FHR I AT 45 R R W] R T ReLUs 0% o6 %419 DNN #H Lt & T Sigmoid ) DNN AN AT DL 345
AR MERE T AN TS 24T Pre-training, L3R BENL W) AL BD AT . SCERL14 ] & B3 i & 29 2 40
W HE T RelLUs i) DNN(RL-DNN) A LR AR K it &5 (9 B UL BE R B (Stochastic gradient descent,
SCDY S AT Al . Wi AT LALAR 25 5 3 R ] 2 BB Ab 31 2% (Graphics processing unit, GPU) #4747
PN L5 T FLIE 3E— 20 b 4 T — i 5 22 A it 09 B0 RS R L (A5 58 1 R & £ 16 1 RL-DNN Il 25 57 i1
CNN 2 ) — P 35 24 1 R B 2 2 BERL 78 IR SR 15 1 T iz iy i F . AR BT DNNL CNN i i ok
JH JR3 08 0 1 R B Rt AL R T DA AR AT B0 e R AE . I U AR S I SO R AE A AT DL A — R B
BB N R B A AEAR K0 22 50 091 b i e 14 40047 26 18 1% 181 A ZE AN TR) . Jor DLl 3 CNINL A 4L
b 25 B K Fh 22 53 MK A R T R S AR SR — S TR d R BT CNN 15 5 75 2 A
AT DNN A] RLARAG A7 g PERE . SCHRL L7 Jrh i ad SR Y 2 )2 CNNL HEER i 4 )2 DNN (4548 A1 T 6
J22 DNN. 7 K ia) % 2208 & WRUIME 55 b n] DLSRAF A6 320 ~5 20 iy MERE$E T, SCik[ 18142 ¥4 CNN
M RL-DNN #1454 ] LIRS — 25 MR RE SR T . LR CNIN 0 FH 3138 & 11U b O A R K — Bt (]
RS HJE 4 CNN Y 4E —Fh e pe AR AE $2 0 T i — e R AR R 2 A 1~2 219 CNN 2,4
JEi i J2E TR FH At il 28 09 245 45 R g A7 A . I A i O 1 — S B 5 b CNIN AL 35 3 SHO345 31 1 37 1 1
R ARG T 2Z 0009 AR B R AS )2 A T A % %R )2 9 CNN 45 44 (Deep convolutional neural net-
works, DCNN)"* g8 10 ZEHEF Z A ERUZ . TR0 45 R0 R IR ZE M CNN A1 7] LUK 5 47 1
PERE
WA e —FEE AR P (55, W A & o KB B s A A e T B E S E B, T
DNN FI CNN X 4 A A5 5 19 2% 32 W0 AF X [ 5 o T LA K i B3 3l 285 A 5 1 1) S AR A7 AF — 58 1 Bl B
RINN Gl i 7 B J2 W8 0 — 26 f it % 432 AR AT B — 3 19 sl A8 10 1S B8 g » X K I I e gl A AR G B
B @ RRE ) . SCERL23 Ji W22 0K RNN T35 & PR 5 Y 75 24 @i, 78 TIMIT 35 BHE B IOR T2
I o B A TR RE o bl T TR B RININ 23 77 7 6 J32 0 2K () gl — > el g 1) 52 28 2 B 1 I A i i 12 Bt
(Long-short term memory, LSTM)"" fy3 19454 . SCHk[25 1 1 LSTM-HMM 7& K808 B 1 3k75 T
B, MR RIS BT LSTM il & A2 @B pF 8 b . BT 8 LSTM 1y ih & 75
SERA 2R S8 0] DLARAFAH H 3 T DNN R G088 i 20 %0 i A dEsE#2 7. Sk [26 145 &5 CNNLDNN DL K
LSTM % [ a0, 3211 T CLDNN g5 44 J T35 & 19 75 7 R
HAR LSTM A T DNN FEREBIMEGE B A B R iy 3 A0 2 I 25 LSTM 75 224 AT 0T i 8] Jig FF 1) Jie
M) % % 58 1 (Back propagation through time, BPTT) &k, & BN AT  m B Y240 kb F DNN &

Sigmoid:o(x) =
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SR o POk G ] b 458 R f) bl 2 19 2 o RE R LSTM —#F HAT K I I 15 3l 25 R0 5C 1 ) 45 g ) J2
— MBS . SCERL27 T 82 K RNN 95 45 i (8] Jg& IF . T RLTE I 25 3 B2 AT DNIN AT B (945 20 T 3515 38 4
AIPERE . HHE— 5 4 LSTM 4544 5 I () & Tt Ho 85 IR ME o SCHR 28 ) v £ H 1) IR [1) B Iy oft 232 o) 2%
(Time delay neural networks, TDNN)J& 75 #h— AT LXK I I 5 3l 285 A0 56 1 E 47 A48 1 1l 15t 0 ot 22
W4, 7E J JE i AR b, TDNN g 13 J #1) LVCSR AE: 45 [, Mg w22 T LSTM. J 4b, 3Ciik
[31~32 Hp #& H 19— Fh i i e 41 30 42 M 4% (Feedforward sequential memory networks, FSMN) , 7] DL
/N B A TR R PR 9 R L IR L LSTM B 4 Y PR fE .

2.3 ETREZFINEFTRINFHFERNEREZMRK

H i DNN-HMM Hft GMM-HMM JCh 15 & 303 1 5 35 2 B8, 008 1 35 i Mg 4R
B3 T DNN B35 3 R0 A 2 BERL 2502 — A S AR I i o B o BE & R 0 dks i A A B0k ml L2k
Ao 1 T8 A 0 BOR B 22 L PRI R T DRSO 1 TR R 2 > i TR 2 R A I 2 R S — Al D)
figp TR P T 0, 3K 75 TR ) A R BOmT A i 25« L ] ) P i 228 o 2 %) A P 80 T 245 A S 1 35k 1 1)
2% o DT o 3 1 4 1) 2 s (2) Jn e R 2 GPU A7 345 A0 25 .

DNN G 3o 38 7 B )2 LA K B2 35 sl i B H L i] AP AR S A B R R GK B8 g o i) AN AE 35 & U3 P 2 4
BRAE 5 Hh — A8 RS DNN R 28 2540 4055 6 D2 A FRZ 5% 2 048 Y R . XA Ay M 2% HA TR 33
A TCARME L3 AT L 3 I 2l SO R0 25 B 4 M g 1R 5 B e Tk . SCERC35 A I 58 R B DNN oy R &
O RCEE [ B/ T 0.1, 3k e AR /IS AU ] LA ) &R 05 AN 23 X 19 46 4 RE 7 AR AR R A 52 e o A OC 52 36 45
WY AT LUK 2% 80 00 AT B O, T JL-F A58 PR R . AR AT LA R o B R S 8 (B
SEIFASRE NP Gk BE . SCHRC36 00 i — 25 43 Hr 77 DNIN A9 s 4 1k & B8 A3 &1 )28 L 1) 4 ot 1
S5 DRI i EE 1 — R G2 T R U ) 5 T A A8 D/ T 4 ) S R T I R I — A I R Ak R R
T o AR 0 A A 0k B R P L SCHIRC37 15 T 6 PR AR R 43 ik 119 7 125 5 K JBUAS 119 DNIN A H 66 % 4 i
J P A 7N B A 3T 19 T8 2K DT AT LA D90 2% 19 S 8800 0 30 96 ~ 50 0o SCHR (251 — 25 3t 4 4 P A Bk 43
fifR 1 LSTM AHSE & FR 0 BT iE  LSTMP 4544, o ml LK B2 3 it LSTM i Il 2k . SCHRE38 4% s —
ST R YA 7 v T AR BORE 50 20 19 0D I 45 e 2 B T R AR AS ) 1 BB A 2K

o1 T8 GPU B3+ RE 1 A BR L AR MEAL 38 1 500 BT LR S8 an el £ 47 2 CPU 84 GPU JR47 5%
Je—MITTUIIE A . & T 3K 7 T ARIE ST 1 580 20 KOHe 1 SR w78 SCHR 39 ~ 40 v 2 Hh K I 25 55088 2o i
RZ /Ny IR G B TE— DAY GPU b EA7i8 5 515 2 50 B BEOR - 35 25 SR B 70 . 3 b 7 ik 32 [R
T SGD Il 5 b b 250K /M 1 (mini-bateh) AN [6] B & ] (9 550 % 28 5 2% 5 2508 05 A0 AR m o DT 33l
RARKAY N Zrl BE$2 T . SCHRLA T T4 4 It oy ol ~F- 2 73 i N 1 S8 5 4340 8 A — 5 AL 4 B2 )l
Gr—> 7 W25, 45 % ARG X 28 1 N 255K F 2945 3 — A SUBERL, 03 B % A PLas B e T NS . X Fh Oy
AT LA RO S L g =2 ) A IRAAN (H 2 S S BUR R A PERE I 2% o i T B & =2 18] 0 e R A 2 O A7
BB — A, ek 4232 548 Bl HLER FE T [% ( Asynchronous stochastic gradient descent, ASGD),
AT DL 20 A i TR A A AL 5 E T CPU AR BE R 54T DNN B FRAT I 25 . i SCHR[ 43 1K ax
TP R T GPU L FHZ GPU S5 AT 2R, 35 29 1 B4 A . AR ASGD AT LUA R4 3t 4 i
AN ) 55 B 0 22 6] ) JE AU AH LY R A Fe g s R E— 2P YT R BB £ GPU I L A& B
ROPEREMI R o BEXS I IA) R, SCHRL 44 D82 1 P B4 5 3 3 8 (Blockwise model-update filtering, BMUF)
Bk a5 AR B & A 7 2 AT LSS 2 GPU 22 (8] i 58 1R B it HL 3R A S B T 45 b
GPU % H # H fining £ 1 ik
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2.4 ETREFIMNETRAINFERENIRIENBER

— ROR UL BTG A TC AR UL T 35 U 1 RE B 225 T U0 I AHE DGR, H T3 A AR A i A —
FFE UETE AR R T TN 92 B i AN JL T A0 o o 8 U3 P 2 R B s N B 3 N — R AT
WU RE AL T U618 A JC OB AY , I HL T A5 09 R a2 U 35 A A 5080 o J2g I T U0 30 A A DG A 1) B i 2K

G H T GMM-HMM [)if & 15 A 2SR ui s N BE AR C&H TR ZBBANE AR,
FEREBAT LA 23 P26 o — Pl 2 A B A B30 N 35 07 g — b 2 R O i) U N N . AR R )
N L SE 38 3 % 25 0 3 R R AT 3 L 5 DA A B — A S AR O R R 5 R A 1 3 i
0 A4 2 1A TG 0GB FRAE

BT REE 7 ) BT & U P 2 R A UG TE N B 3 I 1T AR R T U A R B BT N 8 B
BFoEHRs . SCHRC45 PBAL 48 i GMM-HMM 75 24 45 8 14 29 3 8 K BLAR 26 14 [ )9 (Constrained maximum
likelihood linear regression, CMLLR) [ 3& W 55 125 W JH 2 1 5E T 08 B2 2% > B 75 S BEA0 9 38 N, 32 1 1 4
AiF 23 [a] [X 43P Z6 4 8] I (Feature-space discriminative linear regression, FDLR) [% 45 fiF 3% #5835 A B & W
Tk TG S W TR UM PR SR AL Y [ AT S AR v R AR AR e L T AT DLE 4 D
T LA

(D) T UL NRFAE Y B 3 0 v o H 32 SR8 B Tl 2o — i f, & 38 A M 2 01 HLRB 8 IX. 73 A [m] 3t
N BRI % B 92 0k T IR 2 20 B TR U AR A BRI A GE N . 4800 Ok R (identity vector, i
vector) j&—FidL & UL IR A MG BRIE B A5 B iR & BE T i-vector B BT A B A& I 5 ¥ A A SR A
{14 T AR O I 1) i-vector . SR 5 B i-vector [H] A 2 AR5 AE AR @l A AT S BUBE B B TS AN A IS
7o SCHRLAS 13 3 $2 UM T (Bottleneck , BN)RRIE »FFi% BN RpAE LL 3L Jy Ul A B 5L TR 22 2T 1Y
R AR AN B T 5 A4 5 (Speaker code) (135 A & B A AR RIS A EE E
) Speaker code, #& J5 ¥ Speaker code it A 2 T BE 5 2] (15 & YU P54 4500 1) BT A )23 HE AT R AL Y
RPN E BT

(2) & T HRLIE WAL A 3635 A B 3& W J7 5. %07 B B H R 8 BRI N Y 0 i HHE R — U aE A
TCRAGERY , Ff 38 3 455 7Y 1 D] A st B By 7 AR A R R G U5 TR R . SCHRLS52 42 1 1 — i ik 1 KL iU (Kull-
back-Leibler divergence) B i 1A A H & W 75 5, 1% 7 840 KL BUE 2908 5 385 07 S5 B8 1Y )5 56 8 32 0 A
AN i B U R N TG AR AL ) o A R R S B AL R . S A, STk (53~ 54 i@k xR 3k
J% (Context independent, CD ) HMM ARZESEM AEMN =, —ERE F 2P 7 X FF XA & (Con-
text dependent, CD) 7 2445 AU (1 R 3%

(3) e T AN AR A UL N A &N Tk o 107 AR RG5O U aE AN TG 5C i ik T TR 2 o 1Y 3R R0
FEAFRE R A — A0 TR AR Z R T A & I S R R T N TG G A Y B 4 Oy
FE VLR AL AE T . SCHBRLS5~57 1R F L Hedili A Gt 28 8 2 19 J7 X 43 0 e i A2 L B8 )23 R i s )2
AT RIS o H R T 3 B 4l A S8 40 )2 1 T SOk B B A BE TS AT 2 2R i 2 80 R OR
oy FEE B A o SCHRES58~ 60 TR It 4 i Ul 35 AN JC R B k4T SVD L IUAR A HEL, SR )5 FHTE SVD )2
ol A S AR 2 R AR 2 SRR T R AR Ty DR 2 SR ORI T & N B BT
s BRI S B A — € R LA R, 55 Ah AR AN [R] 08 3 A7 e 2 B0 5T 1 80 7 R/
AN—FE L CHERL 6T 3 T 3 T LM B2 Z #0434 (Linear hidden unit contribution, LHUC) ¥ #5i1&E A B i
T 1% 5 T T RS U N A% 2 JORE N A B2 BI04 A BT T BT I TR N B 3 R RIOR .

(O T Z Bl G AU N B3 N7 ¥ o %07 VR AE P AP R A () T — 2 L K 2 BE T LR TR
JIE 2 2] 1 1 TR A 2 RO A R LR X PR P A R ) 4 (A AR PR R B
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N BT B8R 38 5 I 5 ok R A5 X6 I A A 1 2% B o 38 5 N (B 2R A O X BE AT A 1B AT BR AT 4R A2 TS A
Y 7 2R R R,

(5) BE T P0G pR B B3R N B 38 Nk o R IA R A U TR N TE IR J2 A R R 4% 4T R b A I
TG AR JE AN — A%, PR AT AR 44> D83 A 38— 2R 1R 8006 R 5 S U 16 N 183 7« 1 T o R RT DA
FH R R KA 1E A8 pR A 8 2 2 80k 19 Sigmoid FIBEUEI RelLUs B Rk 2,

Vi T A TC A5 1Y R I S5 A0 5 W6 A~ B B U s N B IS A T — T I SR B A R AT 3
BB, G A SEBR R R . B 35 N BB S R O U R B Y SE R . BE T ivector B TR AN RRTE
B 35 N AR AN T B A S R B B AR SRR AS R SE PR R HR B I ) T AR ILAY i-vec-
tor FAEANRRIEIEH b R R TR AE R B S H B A E N G HRAANHE L B EREEZNEL.
TiHN LR A WRE N BEN FEREZSHAF A NG AN EREZNEL. BEE
745 3 T 75 A e 1) ) R
2.5 ETREFINHIRKIEZTIRA

DA B Ji o 3 14 R T R B2 2 ) B 1 i R 0 R 2 R A R R OR TE R AL 2 B AR TR e T
GMM-HMM 35 ¥ R 5 H AR 75 22 B ARAE SR 145 R FH2E L GMM-HMM (1435 ¥ HOj BORIAE B2, . 75 2
TR T8 5 R R B I N7 38 e S i P R K P AT RS . R BRI R R e
FIF HMM 17 %5 55 45 21 1 25 55088 W 2 50 0% b 3 o BT DL B AN B 38 i )1 25 20 BUAR 2 1 B B . 41 X Bt ()
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